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As the domain of computing and communication systems grows, heterogeneity
among computers and subnetworks employed for a task also increases. It is important
to understand how heterogeneity affects performance of computing and communica-
tion tasks in order to optimally utilize heterogeneous resources. However, the effects
of heterogeneity in heterogeneous computing and communication systems were either
not taken into account explicitly or not thoroughly analyzed in the previous research
work in this field.

In this dissertation, effects of heterogeneity are analyzed, and heterogeneity-
aware approaches are proposed for both computing and communication systems.

In the computing system context, temporal heterogeneity refers to variation,

along the time dimension, of computing power available for a task on a computer,

v



and spatial heterogeneity represents the variation among computers. Effects of het-
erogeneity on the performance of a target task have been analyzed in terms of the
mean and standard deviation of parallel execution time. The results reveal that, in
minimizing the average parallel execution time of a target task on a spatially het-
erogeneous computing system, it is not optimal to distribute the target task linearly
proportional to the average computing powers available on computers. Based on the
analysis results, an approach to load balancing for minimizing the average parallel
execution time of a target task is described. The proposed approach, of which validity
has been verified through simulation, considers temporal and spatial heterogeneities
in addition to the average computing power of each computer.

In the communication system context, the concept of temporal and spatial het-
erogeneity in the available communication resource is applicable to various levels of
a communication network. Effects of heterogeneity on the performance of individual
messages in a heterogeneous communication systems are analyzed. A heterogeneity-
aware approach to source rate control is proposed, which utilizes the heterogeneity
information on the available bandwidth in a UDP-based protocol, to improve through-
put, dropping rate, end-to-end delay, and real-time performance. Two main compo-
nents of the heterogeneity aware source rate control scheme are a receiver side feature
extractor and a sender-side adaptive rate controller. The feature extractor captures
the dynamic features in the bandwidth heterogeneity, and the source rate controller
utilizes the extracted features in the rate control. Performance of the proposed source
rate control scheme has been analyzed in detail through an extensive simulation for

the single and multiple path media streaming, and multiple HAA and/or TCP flows.
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CHAPTER 1

INTRODUCTION

1.1 Problem Formulation

1.1.1 Computing Systems

A cluster of computers is commonly used for high performance computing these
days [1][2]. Such a system is often shared by multiple users and computers in the
system may not be “identical.” One of the most distinct characteristics of such an
environment compared to a dedicated multiprocessor system is its heterogeneity [3].
Heterogeneity of such shared systems has been addressed from various viewpoints of
high performance computing, but much of the research has been devoted to scheduling
a stream of tasks (i.e. from the system’s viewpoint) [4][5][6].

A measure of available computing power may be used to quantify the CPU share
allocated for a given task, which represents the percentage of CPU cycles (or time
slots) per unit time that the task can utilize at a given moment. This measure usually
varies with both time and space. Therefore, the heterogeneity in computing systems
can be classified into two types: temporal heterogeneity and spatial heterogeneity. The
former refers to the variation of available resources with time on a computer, and the

latter represents the variation of available resources among computers.



1.1.2 Communication Systems

A communication network, whether wired or wireless, is normally shared by mul-
tiple users who submit their requests at any time. Heterogeneity in communication
systems can also be classified into two types: (1) the communication resources avail-
able on a channel for a request (or traffic, messages) varies with time, i.e., a channel
is temporally heterogeneous, and (2) different channels would have different charac-
teristics in terms of the communication resources available to them, i.e., channels in
a network are spatially heterogeneous.

The concept of temporal and spatial heterogeneity in the available communi-
cation resources is applicable to various levels of a communication network. For
example, temporal heterogeneity may be considered within individual sub-networks
and spatial heterogeneity among sub-networks. These two types of heterogeneity can
have a significant effect on the Quality of Service (QoS) of an individual request,
such as delay and transfer time, and also network-wide performance measures such
as utilization, system throughput, and queue length.

It is much more difficult to quantify the available resources in communication
systems than in computing systems. There are various sources of heterogeneity on

the Internet, and they can be divided into the following three main categories [7]:

e The topology of the Internet is constantly changing and the types of link (slow
modems, fiber optic links, copper or glass wires, radio, infrared, etc.) span a
wide range and are generally unknown to an end-user. Also, multi-path and

dynamic routing introduce extra complexities.



e There are many protocols coexisting in the Internet, and each protocol has
been implemented by multiple communities. For example, the widely used
Transmission Control Protocol (TCP) has many different implementations, for
example, Tahoe, Reno, NewReno, Sack, etc. Also, different applications ask for

different features.

e Background competing traffic varies constantly in an unpredictable way.

Each individual heterogeneity is either not directly observable or cannot be mea-
sured accurately. For the protocol heterogeneity, a session is only able to know its
own protocol, and it is almost impossible to have knowledge of other sessions’ proto-
cols. The heterogeneity due to background competing traffic is also hard to model in
detail. Since it is either impossible or unnecessary to describe different components
of heterogeneity individually, “available bandwidth” is used as a measure to quantify

the “net” or aggregated effect of all the sources of heterogeneity in this dissertation.

1.2 Related Work

1.2.1 Heterogeneous Computing Systems

One of the important issues is how to utilize a heterogeneous computing system to
optimize performance of a target task. This issue involves modelling the heterogeneity
of the system [8][9], performance estimation [10][11][12][13], reliability [14], scheduling
and load balancing [15], etc.

The concepts of “machine heterogeneity” and “task heterogeneity” are employed
in an effort to model task execution time on heterogeneous computing systems [8][9].

The machine heterogeneity refers to the degree to which the machine execution times



vary for a given task and the task heterogeneity refers to the degree to which the
task execution times vary for a given machine. The main objective was to simulate
different heterogeneous computing environments in evaluating the behavior of the
task mapping heuristics.

A performance estimation model for heterogeneous parallel applications is pro-
posed in [10]. They addressed the heterogeneity among the varying platforms and
operating environments used and the possibility of having multiple tasks of the par-
allel application on each machine.

In [11], a model that calculates the slowdown imposed on applications in time-
shared multi-user clusters is defined. Three kinds of “slowdown” are identified and
the effects of slowdown on application performance are verified with emulated loads.

In [12], the issue of predicting parallel execution time of non-deterministic bulk
synchronous computations, where computation time on each computer is modelled
as a random variable, is considered. A tighter bound of the average parallel execu-
tion time has been derived. Though the randomness of computation time does not
originate from heterogeneity of the computing system in their model, the results may
be applicable to estimating parallel execution time on a heterogeneous computing
system with minor modification.

In [13], the issue of modelling and characterizing parallel computing performance
of heterogeneous Network Of Workstations (NOW) is considered, and the effects of
heterogeneity on efficiency and scalability are investigated. The computing power
(speed) “weight” is used to quantify the spatial heterogeneity among workstations,
but the temporal heterogeneity of computing power on each workstation is not con-

sidered.



In [14], the probability of application failure is defined to quantify the reliability
of a heterogeneous computing system. Minimizing execution time usually conflicts
with improving reliability, and algorithms capable of trading off execution time for
reliability are proposed.

In [15], a “stochastic scheduling” strategy, where the performance variability is
considered in partitioning a data parallel application to be executed on a heteroge-
neous computing platform, is described. The mean and standard deviation of the
predicted completion time of a task are used in scheduling, along with a “tuning

factor” which specifies how “conservative” the scheduling is to be.

1.2.2 Heterogeneous Communication Systems

Realization of an overlay network involves mapping its topology onto the base
(physical) network [16][17][18][19]. This mapping requires finding a “path” in the base
network for each “edge” in the overlay network. Here, a path may consist of one or
more channels or links. The path is to be selected such that it satisfies requirements
(for example, bandwidth) of the corresponding edge. Also, multiple paths may be
employed for an edge when a single path cannot meet the requirements of the edge.
Heterogeneity must be considered in mapping of an overlay network and scheduling
of messages in the network, in order to optimize its performance.

In an effort to minimize communication overhead in high performance computing,
multiple communication paths between computing nodes were employed [20]. The
main issues are how to choose one path over the others and how to partition a large
size of data (message) among multiple paths. They considered “characteristics” of

paths, such as latency, in path selection and aggregation. However, only spatial



heterogeneity in terms of the average characteristics has been considered. That is,
temporal variation of the characteristics was not taken into account.

The idea of utilizing multiple paths was also employed for video streaming in
the “path diversity” framework [21]. Here, the objectives are to minimize packet
loss caused by congestion due to time-varying bandwidth and to provide sufficient
bandwidth for media streaming, by using more than one path simultaneously from
a source to a destination. A quantitative measure of temporal heterogeneity in the
bandwidth was not considered in their algorithms.

In order to quantify (temporal) heterogeneity in the channel bandwidth, one may
consider a second order measure of the bandwidth in addition to its mean. Earlier,
heterogeneity in the available computing powers of computing nodes on a cluster or
Grid was studied in terms of load balancing [22][23], and it has been shown that
average parallel execution time of a task can be substantially reduced by taking the
standard deviation of available computing power on each node into account when
partitioning the task over multiple nodes.

Most of the previous work on communication bandwidth management utilized
either the average or instant bandwidth. Nevertheless, there have been some re-
search efforts on scheduling and allocation problems under varying channel conditions
[24][25][26]. Basically, heuristic approaches are taken to compensate for variations in
the channel conditions in order to satisfy certain QoS requirements. Another load-
aware routing protocol [27] also considers only the average load at intermediate nodes.
However, heterogeneity was not explicitly taken into account. More specifically, the
second order moment of available channel bandwidth was not quantitatively utilized

to optimize network performance.



1.2.3 Network Measurement

Measurement of the bottleneck bandwidth over a network path may be performed
on either the sender (source) or receiver (sink) side. Sender side measurement avoids
the need for modification of software on the receiver end, and therefore a new protocol
is easier to deploy. However, the measurement delay for a sender side scheme is about
twice that of a receiver side scheme. Depending on the requirement of a specific
application, where to perform the measurement needs to be determined.

Several schemes for probing the link states based on “packet pairs” were proposed
in [28][29][30]. The sender transmits probing packets in the form of back-to-back pairs,
and estimates the bottleneck service rate from the spacing of the acknowledgements
(ACK). However, this approach relies on several unrealistic assumptions which may
lead to inaccurate measurements. In order to improve the accuracy, an intersection
filtering method with a multi-phase variable packet size was used in estimating the
bandwidth [31]. The main problem with this scheme is that it is difficult to properly
set the bin width and boundary of the histogram without knowing the shape of the
distribution in advance. To overcome this difficulty, a packet pair scheme combined
with bandwidth filtering using a kernel density estimator algorithm was proposed
[32][33]. Note that the post-measurement processing/filtering steps in [31][32][33] are
performed off-line, therefore, they would not be appropriate for applications where

the real-time requirement is critical.

1.2.4 Source Rate Control

TCP uses explicit rate/congestion control. All implementations of TCP employ

the so-called Additive Increase and Multiplicative Decrease (AIMD) algorithm first



proposed by Jacobson in 1986 [34][35]. The main problems of this algorithm are
its slow convergence speed and large rate oscillation [36]. Also, its multiplicative
decrease scheme, which cuts its sending rate in half in response to each indication
of link congestion, may unnecessarily waste the available network bandwidth. For
a smoother and more gradual rate adaptation, many TCP-friendly congestion/rate
control schemes have been proposed [37]. For example, a Loss-Delay based Adaption
algorithm (LDA+) [38] is a variant of AIMD congestion control scheme, which adjusts
the source rate dynamically based on the current network situation (using an estimate
of the bottleneck bandwidth obtained by a packet pair approach). The bandwidth
share of a flow is determined using the TCP model during loss situations, and can
be increased by a value that does not exceed the increase of the bandwidth share of
a TCP connection for the case of no loss. Because AIMD-like control mechanisms
mostly focus on fairness among competing TCP traffic flows and usually lead to
bursty traffic, they are not preferred by many real-time applications, when one is
more interested in per-flow performances such as throughput, end-to-end delay, and
inter-packet arrival time (less jitter).

A TCP-friendly solution has been proposed to evenly space TCP packets injected
into the network over an entire round-trip time, so that data is not sent in a burst
[39]. However, this approach often leads to significantly worse throughput than the
regular TCP because it is susceptible to synchronization losses and delays congestion
signals [40].

A feedback mechanism has been introduced for packet-spacing techniques [41][42],
which enables UDP-based applications to perform well while being adaptive and self-

regulating. This damped Packet-Spacing Protocol (PSP) transmits data at a near



optimal rate by using a simple feedback mechanism that reports packet loss every
round-trip time. However, the only congestion indicator used in PSP is packet loss,
which may not be sufficient for optimizing QoS on a network with a high degree of

heterogeneity in bandwidth.

1.3 Motivation

In most of the previous work, (i) not all types of heterogeneity were taken into
account, (ii) heterogeneity was often considered only implicitly, and (#ii) effects of
heterogeneity were not thoroughly analyzed.

The heterogeneity in both computing and communication systems needs to be
quantitatively represented. It’s also necessary to have a clear understanding of how
heterogeneity affects the performance of a given task, and show how the proposed

approach can be applied to various application scenarios.

1.4 Research Objectives

The effects of various types of heterogeneity are to be analyzed to show the possi-
bility of improving performance of tasks by considering the information of heterogene-
ity. Heterogeneity-aware approaches (HAA) are proposed to improve performance of

both computing and communication systems.

1.4.1 Computing Systems

Effects of spatial and temporal heterogeneity on the performance of a target task

are first analyzed in detail. It is shown that, it is not optimal to partition a task



over computers linearly proportional to their average computing powers in order to
minimize the average parallel execution time.

A heterogeneity-aware approach (HAA) to load balancing, designed to minimize
the average parallel execution time of a target task in a spatially heterogeneous com-
puting environment, is then proposed in order to provide a theoretical foundation
for developing a practical load balancing scheme. The proposed approach explicitly
takes into account the standard deviation of available computing power in addition
to the average computing power available on each computer. It has been shown that
the average parallel execution time of a target task can be significantly reduced by

the approach.

1.4.2 Communication Systems

The TCP/AIMD-like source rate control schemes usually lead to bursty traffic
and therefore are not preferred by many real-time applications. The use of feedback
based packet-spacing approaches [41][42] improves real-time QoS in some situations.
However, “packet loss” by itself may not be sufficient for describing the dynamic
features of rapidly varying bandwidth. A bandwidth measurement technique could
be used to provide some additional information to the source rate controller (as in
[38]), but previous researchers have only used the first order feature of bandwidth
samples. In order to extract useful features from the measurement, some types of
post-measurement technique needs to be used. In a real network, however, a rate
control scheme cannot afford a time-consuming filtering algorithm [31][32][33].

In this dissertation, a heterogeneity-aware approach to source rate control is

proposed, which is adaptive to time-varying available (bottleneck) bandwidth. The

10



proposed scheme extracts the second-order moment (standard deviation) as well as
the first-order moment (mean) of the available bandwidth and explicitly takes them
into account in determining the source rate dynamically. A simple feature extractor
implemented at the receiving end measures the features, including the mean and
standard deviation, using a packet-pair approach and sends them to the source. For
the feature measurement, data packets are used instead of inserting control packets
and, therefore, no extra traffic is generated.

Applications of the HAA rate control scheme to the path selection problems on

an overlay network, and a multi-path media streaming framework are also considered.
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CHAPTER 2

EFFECTS OF HETEROGENEITY ON A TARGET COMPUTING TASK

2.1 System Model

The high performance computing system to be employed in this study consists of
N heterogeneous computers interconnected via a communication network. The speed
of processor, speed and capacity of memory (including cache), and bandwidth of I/O
system, etc. may not be the same on all computers. Different software, including the
OS, may be available on each of the computers.

All these hardware and software components collectively affect the effective com-
puting power available for applications on each computer. It is the available com-
puting power for a target task that eventually determines execution time of the task.
Hence, in this dissertation, “availability” of computing power and communication

bandwidth is employed in defining heterogeneity.

2.1.1 Availability

Let the maximum computing power of computer C; be denoted by «; for a
target task for ¢ = 1,..., N, where N is the number of computers. The computing
power available for the task at time ¢ may be expressed by «;A;(t) where A;(t) is the
“availability” of C; for the task at time ¢ and 0 < A;(¢) < 1. The mean and standard

deviation of A;(t) are denoted by a; and 04,, respectively.
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In the steady state, a; and o4, are assumed to be fixed and do not vary with
time while A;(¢) varies with time. In the time-varying state, not only A;(¢) but also
a; and/or oy, vary with time, i.e., one needs to use the notations a;(t) and oy, (t).
The time-varying state is not considered in this dissertation.

Availability of communication bandwidth can be defined similarly with notations
Bi, Bi(t), b;, and op, for the maximum, instantaneous, mean and standard deviation
of bandwidth, respectively. To avoid redundancy, they are not defined separately.
One difference is that B;(t) tends to decrease as N increases due to the contention
on the shared media, while A;(¢) is independent of N, especially for data parallel

applications.

2.1.2 Heterogeneity

When a set of heterogeneous computers is shared by multiple independent users,
workload on each computer would vary with time and computer. Therefore, workload
coupled with the heterogeneous hardware and software components makes availabil-
ity (computing power) vary spatially and temporally. Temporal heterogeneity refers
to variation of availability along the time dimension on a computer while spatial
heterogeneity refers to that among computers as illustrated in Figure 2.1.

With the notations given in the definition of availability above, a computer (C;)
exhibits temporal heterogeneity when A;(t) is a non-uniform function of time. A
system consisting of multiple computers shows spatial heterogeneity when a; # a;
and/or 04, # 04, for some 4, j where i # j. These two types of heterogeneity will be

quantified in Section 2.3.5.
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Figure 2.1: Temporal and spatial heterogeneity. A;(t) is the availability of computing
power on C; for a target task, where i =1,... N.

The temporal heterogeneity is due to the fact that users submit their tasks at any
time and the size of a task is variable, i.e., the task arrival and size are random. There
are two sources of the spatial heterogeneity. One is system-related: hardware and
software components are not the same for all computers. Also, the interconnection
network may not be “symmetric.” The other is task-related: the task (workload)
characteristics (arrival time and size) may vary with computer.

An interconnection network or networks are usually shared by computers. As a
result, the spatial heterogeneity of communication bandwidth tends to be lower than

that of computing power.



2.2 Task Model

Two task models are employed in this dissertation: the base and augmented task
models. In the base task model, a target task is assumed to be linearly partitionable
over N computers, i.e., the sum of computational loads of subtasks is equal to that
of the target task. In order to focus on effects of heterogeneous computing power on
the performance of a target task, communication is not considered in the base model.
Many data-parallel applications such as low-level image processing, (Monte Carlo)
simulations, matrix computation, etc. would fit to this model well.

However, in many other applications, as a task is partitioned, communication
among subtasks is unavoidable for sharing data and results, collecting local results,
etc. The augmented task model is derived by incorporating “periodic” communica-
tion phases into the base task model. That is, execution of a target task consists of a
sequence of alternating computation and communication phases. Hence, a communi-
cation phase can be considered as a synchronization point at which all N computers
are required to be synchronized for data communication before proceeding to the next
(computation) phase. There are many applications which can be represented by this
model, e.g., iterative optimization, simulation of a physical or chemical phenomenon,
medical image reconstruction, etc. The number of synchronization points is denoted

by Nj.

2.3 Performance Measures

Performance of a target task on a heterogeneous computing system may be mea-

sured in a few different ways. One popular metric is to use the execution time of the
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target task, of which minimization is the main objective of high performance comput-
ing. In a heterogeneous computing environment, execution time varies significantly
due to the temporal and spatial heterogeneity and, therefore, the average execution
time may be employed as a performance measure. From the stability point of view,
one may want to minimize variation of the execution time, in which case the stan-
dard deviation of execution time can be used. Another way to quantify stability is to
specify the probability that the execution time longer than a certain threshold is ob-
tained. In this section, the performance measures to be employed in this dissertation
are derived.

Let’s denote the size of a target task by X and the portion of the target task
assigned to the computer C; by X;. The execution time of X; on Cj is referred to as
T;, which is a random variable, and its mean and standard deviation are denoted by
t; and o, respectively. In this dissertation, the same notation is used for a random

variable and its observation in order to minimize the number of variables.

2.3.1 Mean and Standard Deviation of Execution Time

Referring to the definition of availability, the relationship between X; and T; may

be expressed as follows:

o= (2.1)
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Assuming the uncorrelatedness between A;(t) and A;(t'), the standard deviation,
ox;, of the work completed during ¢; can be shown to be ox, = \/t;a;04,. Then, the

standard deviation of T; may be given by

or = A (2.2)

7

The parallel execution time of X in a run, denoted by T, which is also a random
variable, is given by ' = max; { T; } where the notation { } refers to a set. The
mean (7) and standard deviation (o) of parallel execution time of X are computed

as follows:

where E|[ | is the expectation operator.

2.3.2 Spatially Homogeneous Environment

When all N computers have the same distribution of execution time (7”) and
the corresponding cdf (cumulative distribution function) is a monotonically increasing
function, 7 may be expressed as follows (note that the subscript ¢ is not used in this

subsection since all computers are identical and that T; = 7" and X; = X' for all 7):
r o= / NT'F(T)N-Yf(T") dT" (2.3)

where F(T") and f(T") are the cdf and pdf (probability density function) of 7", re-

spectively.
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It is possible to derive 7 in the following form [12][43], referring to Equations 2.1

and 2.2:

T =1 + K(N) o
oA
= ¢t + K(N) Vvt =2
a
X’ X' o
= = 4 K(N) =22 (2.4)
aa aa  a

where K (N) is an increasing function of N and K (1) = 0.

Notice that the average parallel execution time of a target task consists of two
components, one depending on the mean of availability and the other on the standard
deviation of availability, i.e., temporal heterogeneity. It is to be noted that temporal
heterogeneity makes the average parallel execution time increase beyond the average
(sequential) execution time on each computer. The increase is larger when the number
of computers employed is greater. Also, as will be shown later, a higher spatial

heterogeneity leads to a longer average parallel execution time.

2.3.3 Synchronization

When the communication phase in the augmented task model does not include
data communication, it can be considered as a synchronization point. That is, at each
synchronization point, all computers need to wait for the “slowest” computer before
they proceed to next computation phase. Suppose that there are N synchronization
points in a target task, such that the amount of work to be done between two succes-

sive synchronization points is % In order to extract effects of synchronization only,
S
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let’s assume that no data communication is actually carried out at each synchroniza-

tion point. Referring to Equation 2.4, the mean parallel execution time in the jth

aalNs a

phase, 7, can be expressed as %&s + K(N),/-X-24 for j =1,...,N,. Then, the

average parallel execution time 7 is N,7). Hence,

X' X'N,
T = = 4 K(N)y 74 (2.5)
aa aa a

It can be seen that 7 increases as Ny increases even though no synchronization

overhead (e.g., communication overhead for synchronization) is taken into account.

2.3.4 Stability of Performance

Variation of T" may be quantified by its standard deviation, o7, which is to
be minimized when one wants to achieve a stable performance. Also, one may be
interested in knowing the probability, to be referred to as “risk factor,” that T is
longer than a certain desirable threshold, 7;. The risk factor, denoted by RF, is

given by Prob| T > 74 |.

2.3.5 Temporal and Spatial Heterogeneity

In this section, temporal heterogeneity and spatial heterogeneity are quantified
for computing power only, since the definitions would be identical for communication
bandwidth. A difference is that spatial heterogeneity would generally be lower for
communication bandwidth than for computing power. This is mainly because the

communication paths are usually shared by computers.
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2.3.5.1 Temporal Heterogeneity

Temporal heterogeneity is defined on an individual computer, which indicates
variability of computing power available for a task along the time dimension. There-
fore, the standard deviation of the availability may be used to quantify temporal
heterogeneity on each computer. Noting that the average availability may vary with
computer (and also time) and that 7 depends on the ratio of 04, to a; (refer to Equa-
tion 2.4), temporal heterogeneity, to be denoted by T'H;, on C; is defined to be the

normalized standard deviation of availability.

(>
Q
=

TH; Ta, = — (2.6)

The notation T'H will be used when T'H; is the same for all 7 (computers), i.e.,
spatially homogeneous, or, when the mean of T'H; among all computers is to be

referred to.

2.3.5.2 Spatial Heterogeneity

Spatial heterogeneity is defined for a group of computers to be employed to exe-
cute a target task. It represents variability of computing power among the computers.
Let’s denote the mean and maximum of o4, among C; by o’/*" and ¢'7**, re-

spectively, ie., o7 = LYV 54 = TH™™ and 67 = max;{54,}. Spatial

heterogeneity denoted by SH for a set of computers {C;} is defined as

SH £ gper — gipean (2.7)
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That is, SH quantifies variation of temporal heterogeneity among computers.

2.4 Simulation Results and Discussion

2.4.1 Simulation Setup

Availability is assumed to have a uniform distribution (it was observed that
other distributions such as a “truncated” Gaussian distribution resulted in similar
trends). Then, the distribution of execution time on each computer looks similar to
a Gaussian or Gamma distribution which was adopted also in another study [8]. The
average availability a; (or average computing power «;a;) may vary with computer
(C;). However, a; (or oja;) can be effectively normalized in task partitioning, i.e.,
load balancing for the average availability (or average computing power) varying
with computer can be done easily by assigning X;, proportional to a; (or oya;), to C;.
Hence, a; is set to 0.5 with a; = 1.0 for all ¢ in the simulation in order to focus on
the effects of heterogeneity in the availability (instead of the average availability or
computing power) and to maximize the range of variation of o4, (note that 0 < a; <
1.0). Then, the maximum o4, (74,) is ﬁ (%) The computing power «; of C; is set
to 1.0 also for normalization purpose.

The notion of “interval” is adopted to quantify the time duration in which avail-
ability (A;(t)) remains constant. The interval is mostly affected by other tasks (dis-
tributions of their arrival time and size) and the local scheduler on C; and is to be
modelled by a random variable. Note that decreasing the interval given a fixed task
size is equivalent to increasing the task size with the interval fixed, and vice versa.

A larger interval (for a given task size) leads to a higher chance for load imbalance
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among computers. The interval is generated from a uniform distribution of which
range is [0,20] except when it is varied.
Simulation was repeated 1000 times for each case and results were averaged for

the graphs in the following sections.

2.4.2 Effects of Heterogeneity on a Target Task

In this section, some of the simulation results are presented to discuss effects of
temporal and spatial heterogeneity on the performance of a target computing task.
In the graphs where variation of the parallel execution time (7') is analyzed, the
standard deviation of T normalized by 7 is used, i.e., - = or. The results without
communication overhead (but with synchronization in some cases) are provided in
Figures 2.2 - 2.11, and those with communication overhead are in Figures 2.12 and

2.13.

2.4.2.1 Spatially Homogeneous and Temporally Heterogeneous

In Figure 2.2, 7 and & are plotted when N = 1. As can be seen in the figure,
it is clear that the average sequential execution time is not affected by 74, but its
variation increases proportional to &4, as shown in Equations 2.1 and 2.2.

In Figure 2.3, effects of 4 on 7 and &1 are shown for different values of N.
As predicted in Equation 2.4, 7 and &7 increase almost linearly proportional to 74
(which is TH) when multiple computers are employed. When more computers are
employed (a larger V), the effect of 34 on 7 is larger, as shown in Figure 2.3-(a). The
effect of 64 on or is also larger. However, since 7 increases faster than o does, the

effect of 64 on &r is smaller for a larger N, as shown in Figure 2.3-(b).
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Figure 2.2: (a) Average execution time and (b) normalized standard deviation of
execution time on a single computer where X = 100.
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Figure 2.3: (a) Average parallel execution time and (b) normalized standard deviation
of parallel execution time on N computers where X; = 100 for i =1,... N.

2.4.2.2 Spatially and Temporally Heterogeneous

In Figure 2.4, dependency of 7 and o on SH and TH is shown when N is
fixed to 8. In this graph, when SH is zero (i.e., on the TH axis), 7, which is TH;,

is the same for all computers. When SH is greater than zero, distribution of &4,

among computers is linear such that o4, = 677" 4 2(+—5 — 0.5)(674* — oye") for

t=1,...,N. That is, TH = o’}**" in these graphs. As SH increases, 7 increases
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significantly, especially when a’{¢*"* also increases (going diagonally from the origin

on the SH — TH plane).

Figure 2.4: (a) Average execution time and (b) normalized standard deviation of
execution time when SH and T'H are varied with N fixed at 8 where X; = 100 for
1=1,...,8.

Now, suppose that the size of a target task, X, is fixed independent of N and it
is uniformly distributed over N computers. The larger the set of computers employed
for the target task is, the larger heterogeneity (SH) among computers becomes in

mean

general. Two cases are considered: (i) when a7°*" is fixed while SH increases and

(77) when both of SH and &’7°*" increase. In both cases, three different situations,

in terms of how o’{**

is increased, are considered: proportional to v'N, N, and
N?2. Simulation results for cases (i) and (ii) are provided in Figures 2.5 and 2.6,
respectively.

As N increases, 7 decreases almost inversely proportional to N and then starts
to increase beyond a certain IV especially when SH increases rapidly. In contrast, or

monotonically increases as N increases. It increases sharply after a certain value of

N in the case that SH increases proportional to N2.
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Figure 2.5: (a) Average execution time and (b) normalized standard deviation of
execution time. X; = X for i = 1,...,N and X = 100. As N increases, 67"
remains fixed.
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Figure 2.6: (a) Average execution time and (b) normalized standard deviation of
execution time. X; = & for i = 1,...,N and X = 100. As N increases, 53"
increases.

Speed-up is shown for the cases of (i) and (i7) in Figure 2.7-(a) and Figure 2.7-
(b), respectively. The reason why the three curves meet when N = 50 is that the
simulation was set up such that the distribution of 64 among computers becomes
identical in all three situations when N is increased to 50. Hence, what is to be

observed in these graphs is the “shape” (trend) of each curve. It is clear that spatial
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heterogeneity SH alone keeps one from employing more than a certain number of
computers even for an embarrassingly parallel task. Also, it can be induced that the

complexity of the function K (N) in Equation 2.4 is at least O(v/N).

10 20 30 40 50 10 20 30 40 50
N N
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Figure 2.7: Speed-up when (a) 'y**" remains fixed and (b) 6’4" increases as N
increases. X; = % fort=1,...,N. X = 100.

2.4.2.3 Synchronization

The number of synchronization points, N, is varied for different o 4,, to observe
its effects on 7 and 67 when SH = 0 in Figure 2.8 and when SH > 0 in Figure 2.9.
In Figure 2.8, it is seen that as Ny increases 7 increases since the idle time due to
synchronization increases. However, g1 decreases. This can be explained as follows.
The increased T; (or ¢;) due to a larger N, leads to the increased o (refer to Equation
2.2). However, T; increases faster than o, causing o7 to decrease. The increase rate

in 7 is larger for a larger 64 (T'H) and a higher SH, as shown in Figure 2.9.
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Figure 2.8: (a) Average execution time and (b) normalized standard deviation of
execution time as functions of N,. X = 1000, N = 10, and X; = % = 100.
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Figure 2.9: (a) Average parallel execution time and (b) normalized standard deviation
of parallel execution time as functions of SH and N,. X = 1000, N =10, X; = % =
100, and a'p°*" = (0.28.

2.4.2.4 Granularity of Availability

When the size of a target task (in terms of its execution time) is much larger
than an interval (the duration when availability remains constant, refer to Section
2.4.1) (equivalently, the interval is much smaller than the target task size), effects of

heterogeneity (temporal or spatial) are reduced since the probability of load imbalance
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decreases. Dependency on interval is shown when SH = 0 in Figure 2.10 and when
SH > 0in Figure 2.11. As the interval increases (i.e., availability varies more slowly
with time) for a given target task, effects of TTH and SH become larger making 7

and o7 larger. Equivalently, a smaller task would be more sensitive to heterogeneity.
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Figure 2.10: (a) Average execution time and (b) normalized standard deviation of
execution time as functions of interval. X = 1000, N = 10, and X; = % = 100.
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Figure 2.11: (a) Average parallel execution time and (b) normalized standard devia-
tion of parallel execution time as functions of SH and interval. X = 1000, N = 10,
X; =X =100, and 57" = 0.28.
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2.4.2.5 Communication Overhead

Simulation results when the augmented task model is adopted are provided in
Figures 2.12 and 2.13. In these graphs, 7 includes both computation and communi-
cation times. In Figure 2.12, SH op, and S Homm represent the spatial heterogeneity
of availability in computing power and communication bandwidth, respectively. As
expected for the simulation model, SHomp and SH opmm have the similar effect on 7
and or (refer to Section 2.4.2.2). In this simulation, the ratio of computation time

to communication overhead is set to 6. That is why 7 increases more slowly along

SHeomm than SH .
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Figure 2.12: (a) Average execution time (computation and communication times)
and (b) normalized standard deviation of execution time as functions of S H . and
SHeomp. N =20, X =2000, Ns =10, X; = % = 100, and a'}°*" = g™ = 0.28.

In Figure 2.13, SH is the same for both the computing power availability and
bandwidth availability. As N increases, 7 decreases initially and then turns around to
increase after a certain value of N. This is mainly because communication overhead

becomes dominant as NN increases. It is also observed that the trend is more visible

when the bandwidth availability (and computing power availability) shows a higher
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Figure 2.13: Average execution time: (a) when communication overhead is indepen-
dent of N and X = 400, and (b) when communication overhead increases linearly
proportional to N and X = 2000. Ns = 10 and o7}*" = g 5" = 0.28.

spatial heterogeneity (SH). For example, in Figure 2.13-(a), it is seen that 7 turns

around to increase when SH is relatively high while it monotonically decreases when

SH = 0.

2.4.2.6 Load Distribution and Stability (Risk Factor)

So far, only the cases where a target task is uniformly distributed among com-
puters have been discussed. Let’s examine the effect of distribution of the target task
with SH varied. In Figure 2.14, 7 and &7 are plotted as functions of dX with N = 2
where dX = % and Agy = G4, — G4,. In Figure 2.15, the risk factor defined in
Section 2.3.4 is shown as a function of dX. The same set of results are provided when
N =10 in Figures 2.16 and 2.17. In these simulations, 74, is increased linearly with
i among 10 computers as before (refer to Figure 2.4). X is also varied linearly with
respect to i, i.e., X; = Xo + Slopex, (i — 1) for i = 1,..., N. Therefore, a negative
slope means that a computer with a smaller 74, is assigned a larger fraction of X (a

larger X;).
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Figure 2.14: (a) Average execution time and (b) normalized standard deviation of
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Figure 2.15: Risk factor on two computers where X; = % —dX, Xy = % + dX, and
X =200. 74 =221. AGA =0Ga, — Ta,.

It may be observed from these results that, by assigning more work (a larger
fraction of target task) to a computer with a smaller variation of availability, (a) a
shorter (minimum) 7 is obtained, (b) a7 is sharply decreased, and (c) the risk factor
is quickly reduced. These trends are more explicit for a larger N and a higher SH. It
is also seen that the amount of work to be assigned to each computer to minimize 7,
or, and RF depends on SH (and the distribution of 4,). That is, for achieving the

minimum execution time on a spatially heterogeneous computing system, it is not
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Figure 2.16: (a) Average execution time and (b) normalized standard deviation
execution time on 10 computers. X = 100 and X; = Xy + Slopex,(i — 1) for i =
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Figure 2.17: Risk factor on 10 computers (a) 7, = 40 and (b) 7, = 28. X = 100 and
X; = Xo + Slopex,(i — 1) for i =1,...,10.

optimal to distribute a target task linearly proportional to the mean availabilities of

computers.
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CHAPTER 3

LoAD BALANCING ON A HETEROGENEOUS COMPUTING SYSTEM

The results in Chapter 2 reveal that, for achieving the minimum average parallel
execution time on a spatially heterogeneous computing system, it is not optimal to
distribute a target task linearly proportional to the average availabilities (or average
computing powers) of computers. This observation has motivated the development
of an efficient load balancing scheme for heterogeneous cluster and grid computing

environments, which is described in this chapter.

3.1 Two-Step Heuristic Approach

Let’s denote the computing power (speed) of C; at t by S;(t) which has the mean
s; and the standard deviation og,. Then, noting that S;(t) = «;A;(t), s; = a;a; and
os, = a;jos,. When og, = 0 for all 7, a target task is to be partitioned proportional
to s;, in order to achieve the minimum 7. However, such partitioning does not lead
to the minimum 7 in general when og, # 0 for some 1.

Let’s consider cases where og, # 0 for some 7. Suppose that X is partitioned
such that X; is linearly proportional to s;. Then, ¢; (the average execution time on
C;) would be the same for all i, but o7, (the standard deviation of execution time on
C;) would not be. It is to be pointed out that or, is linearly proportional to g4, (or

TH;). Noting that 7 is given by E[max;{T;}] rather than maz;{T;} or maz;{t;}, it is
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possible to further reduce 7 by taking {07} into account. Therefore, load balancing

may be carried out in two steps as follows:

(1) X is partitioned over {C;} such that X; is proportional to s;,

(2) {X;} is further adjusted considering {07, } and {s;}.

In the following, this two-step load balancing approach is elaborated for different

cases.

3.1.1 When s; = s; for all 7, j:

Consider the case of N = 2 (two computers). In Step (1) of the two-step load
balancing approach, X is divided equally between C; and C5 since s; = s5. That is,
after Step (1), X1 = X5 = 5 and ¢; = t. Suppose that o, > o, after Step (1).
Then, it is possible to reduce 7 further by transferring a certain amount of work
(AX >0) from Cy to Cy in Step (2), i.e., X] = X; —AX and X}, = Xo + AX, where
X! is X; after Step (2). Then,

AX A

AX
fi=ti——=%t-An and tg:t2+8—ét2+At2 (3.1)
1 2

where ] is t; after Step (2).
Note that At; = Aty since s;1 = so. Also, from Equation 2.2, it can be shown

that

op, = opy/1——— and o} = opy/l+— (3.2)

where o7, is o7, after Step (2).
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A heuristic scheme, to be referred to as equalization scheme, that can be employed
in Step (2) equalizes the sum of the mean and standard deviation of execution time

between two computers. That is, it determines AX such that

ty+op =ty +op, (3.3)

where ¢; and o7, are given by Equations 3.1 and 3.2, respectively.

The equalization scheme is illustrated in Figure 3.1. The scheme attempts to
reduce the probability that the parallel execution time of a target task, T' = max;{T;},
is large, in order to minimize its average parallel execution time. This heuristic can
be generalized for cases where N > 2, i.e., X; is determined such that t; + o7, is the

same for all 1.

L
C - : >
1 0T1
c)-T
C, - —>
t,
@)
t
C < ! —>
1 GTl
o,
C, - —»
t,

(b)

Figure 3.1: Equalization scheme: (a) after Step (1) where a target task is partitioned
such that the average execution time is the same on all computers and (b) after Step
(2) where the partitioning is adjusted such that t;+ o7, is equalized for all computers.
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3.1.2 When s; # s; for some ¢, j:

Again, consider the case of N = 2, and suppose that s; < s,. After Step (1),
X, = % and Xy = % What is to be done in Step (2) to further reduce

7 depends on {or,} and {s;}, as discussed below, and can be generalized for cases

where N > 2.

(a) or, > or,: In this case, AX is to be moved from C; to Cy and the equalization
scheme may be employed in determining AX. One difference is that Aty > Ats.
In other words, the same increase in ¢y (by moving AX from C; to Cy) results
in a larger decrease in t;, leading to a larger reduction in 7, compared to the

case where s; = s5.

(b) or, < or, and s1 < s9: It is still possible to reduce 7 by transferring AX from
C1 to C5 though the equalization scheme may not be used since the condition,
ty 4+ o, =ty + o7, cannot be satisfied. Reduction in 7 would be smaller than

that in (a).

(¢) o, < or, and s1 =~ sy: In this case, AX is to be moved from Cy to C; and the

equalization scheme can be used. Reduction in 7 would be smaller than that in

(a) or (b).

It should be clear that transferring AX in the other direction than specified
above would result in a longer 7. The above discussion on reduction in 7 for different

cases is summarized in Table 3.1.
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S1 = 89 S1 < S92
o, > 0T, | Oy > 0T, ‘ o, < 0T, (81 << SQ) ‘ o, < 0T, (81 ~ 82)
Direction of AX | C; — Cy | C1 — Cy C1 — Oy C1 «— Cy
Reduction in 7 Smallest Largest Small Small

Table 3.1: Possible reduction in 7

3.2 Simulation Results and Discussion

Let’s first consider a case where the average computing speed is the same for all
computers, i.e., s; = s; for all ¢, j. First, X; = X for all ¢, j in Step (1) of the two-step
load balancing approach described in Section 3.1. It is assumed that ¢; = 100 and
or, = %amax, fori=1,..., N, after Step (1). In Step (2), X; is adjusted such that
th =t; + Sloper(i — %) fori=1,...,N. Sloper = 0 corresponds to the case where
X/ is proportional to s; (the average computing speed or power), i.e., Step (1) only.
A negative Sloper indicates that a computer with a larger o7, is assigned a larger
AX; (refer to Section 3.1) in Step (2) in addition to X; allocated in Step (1).

In Figure 3.2, 7 and percentage standard deviation of (t; + o7.) are shown as
functions of Sloper which specifies how a target task is distributed over N computers.

The percentage standard deviation of (¢; +-07) is a measure which reflects the degree

of equalization, and is defined as:

O(t'+of)

% standard deviation of (t. + o) =
0 ( 7 TZ) (t, + O'éw)

x 100% (3.4)
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where (' + o7) and o1, are average and standard deviation of (¢; + o7,) over N

computers:

(t'+o7) = = “HLU,T) (3.5)

U(t’—&-a}) =

First of all, it is to be noted from Figure 3.2 that it is not optimal to distribute
a target task linearly proportional to the average computing power of computers. In
Figure 3.2-(a), it is clear that the performance improvement (reduction in 7) achieved
by Step (2) (more precisely, Step (1) + Step (2)) over Step (1) is significant, and is
larger for a larger Aop (equivalently, a higher spatial heterogeneity). Comparing
Figures 3.2-(a) and (b), it can be seen that the equalization scheme employed in Step
(2) works well, i.e., the distribution of X minimizing 7 closely matches with that

minimizing variation in ¢; + or;.
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Figure 3.2: (a) Average parallel execution time and (b) Percentage standard deviation
of t; 4 o7, after Step (2) in the load balancing, when the number of computers, IV,
is 10. After Step (1), t; = 100 and Aop = or, — o, where o7, = %UTmam, where
t=1,...,10.
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In Figure 3.3, a system of two computers where s; < ss is considered. In these
graphs, 7 is plotted as a function of AX. Again, AX = 0 corresponds to the cases
where X is divided between two computers proportional to their average computing
powers (s; and s3). It can be observed that reduction in 7, which can be achieved by
Step (2), is larger for a larger s or a larger Aor. Let’s define the percentage error (¢)

x 100 where A7,,4, and A7 are the maximum

of the equalization scheme as %
Tmax

possible and achieved (by the heuristic) reductions in 7, respectively. In this set of

results, the average ¢ was 5.1%.
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(a) (b)
Figure 3.3: Average parallel execution time on two computers (a) with a fixed Aoy =
or, —or, = 50 (o7, = 10) and (b) with a fixed s = 4, where s = 2 (s; = 1) and
Aop = or, — o, (o, =0).

In Figure 3.4, percentage reduction in 7, which is achieved by Step (2), is analyzed
with the number of computers (N) varied. In this simulation, s; increases and or,
decreases linearly proportional to i, i.e.; a faster computer has a smaller variation of
execution time. The percentage reduction in 7 is defined to be % x 100 where
71y and 79y are 7 achieved by Steps (1) and (2), respectively. It can be seen that the

percentage reduction increases as N increases. That is, the performance improvement
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Figure 3.4: Percentage reduction in average parallel execution time as a function of
the number of computers (a) with a fixed Aoy = o, — o7, = 60 (o1, = 0) and (b)
with a fixed s = 5, where s = 2% (s; = 1) and Aor = o1, — o7y (07, = 0). After
Step (1), t; = 100 for all 1.

by Step (2) becomes greater when a larger number of computers are employed. In
Figure 3.4-(a), Aoy is fixed independent of N. However, in reality, Aoy would usually
increase as N increases. Therefore, in such a case, one may expect a larger reduction

in 7. Note that a larger Aoy leads to a greater reduction in 7 as shown in Figure

3.4-(b).
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CHAPTER 4

EFFECTS OF HETEROGENEITY ON AN INDIVIDUAL NETWORK TRAFFIC

In this chapter, how heterogeneity in channel bandwidth affects the performance
of an individual message is analyzed. Also, application of the analysis results to path

selection and multi-path data transfer are considered.

4.1 Network Model

4.1.1 Topology

In this dissertation, a communication network is represented by a graph where
a node may be a user, a switch, a router, etc. and an edge is a wired or wireless
channel or link. Bandwidth of a channel refers to the bandwidth that is available for
or can be allocated to an individual message (request) on the channel. A path is a
set of consecutive edges (links) from one node to another. Two types of paths are of
interest, serial path and parallel path.

A serial path consists of IV serially connected links from a source node to a
destination node through N — 1 intermediate nodes (routers) as illustrated in Figure
4.1-(a). The bandwidth B;(t) of link ¢ (I; in the figure), specified in terms of packets-
per-second (pps), is assumed to be randomly distributed between B! and B with

the mean of b; and the standard deviation of op,, where 1 < i < N. B;(t) remains
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Figure 4.1: Illustration of (a) a serial path and (b) a parallel path where N, = 2.

constant over a period of time, referred to as an interval, T} iervar, as illustrated in

0B,
b;

Figure 4.2. Also, the normalized standard deviation, , is denoted by op,.

A parallel path is composed of N, serial paths which are independent of each
other, as illustrated in Figure 4.1-(b). Path j of a parallel path consists of IV, links
where 1 < j < N,. Link ¢ on path j may be denoted by [;; along with the associated
bandwidth parameters B;;(t), B, B}}?i”, bij, and op,;. For a parallel path where
all links on each path are identical, b;, op;, and o, will be used to denote the mean,
standard deviation, and normalized standard deviation of bandwidth of all links on
path j, respectively.

Transmission rate at the source node follows the bandwidth of the bottleneck link
(the link with the minimum bandwidth) in the path. Note that a higher transmission
rate would lead to a higher throughput, but at the expense of a longer (queueing)

delay. The source node is informed of any change in B;(t) with a delay of Ttecapack

and updates its transmission rate at an interval of T),p4.. Practically, the value of
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Topdate should not be shorter than the average one-way-trip-time from the destination

node to the source node.
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Figure 4.2: Temporal bandwidth heterogeneity on each channel and spatial bandwidth
heterogeneity among channels.

Temporal heterogeneity of the bandwidth is defined for each channel or link ¢ and
is quantified by ap,. This indicates the temporal fluctuation of bandwidth (available
for a message) about its mean. Spatial heterogeneity is defined for a group of channels
or links and may be quantified by a measure of variation among the members in the
set {0, }, such as the difference between the maximum and minimum.

There are other factors in addition to channel bandwidth, which can be consid-
ered in a network model. However, the main focus of this chapter is on analyzing

effects of temporal and spatial variations in the bandwidth allocated to a message on
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QoS’s. Therefore, those factors are not explicitly considered in the model. Equiva-
lently, the model takes only their combined “net” effect on the allocated bandwidth

into account.

4.1.2 Performance Measures

Some communication performance measures used in this dissertation are defined
below.

Throughput (T'HR) is defined to be the size of data that a path (or multi-
path) is able to transfer in a unit time, in terms of packets-per-second (pps) when the
protocol has a uniform packet size, or bits-per-second (bps). This measure reflects
the effective bandwidth of the network path. This is a long-term measure, which is
evaluated on the destination node.

End-to-End-Delay (7..) is defined to be the time it takes to transmit a packet
from the source to the destination. This can be decomposed into 4 components,
i.e., propagation delay (7},), transmission delay (T3,), queueing delay (77), and other
overhead (7,). T, represents the overhead including system processing time, packet
assembling or disassembling time; 7T}, is related to the physical property of the network
which is determined by the speed of the electro-magnetic wave on a certain media
(copper, fiber, etc.); T, is the waiting time that a packet spends in queueing into and
dequeuing from the buffers of routers on the path, and reflects the mismatching of
bandwidth between two successive links; and T, can be expressed in terms of the

transmission rate (r(t)) as follows:

Ti-(t) = 1/r(¢) (4.1)
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Note that there is a trade-off between T}, and T,: when increasing the source rate
r(t), Tt decreases since it is inversely proportional to r(t) and T tends to increase
when r(t) gets faster, if there are some packets buffered. This dissertation mainly
focuses on T}, and T; because they are the two main components of 7, while the
other two components are also included in the simulation model.

Dropping Rate (DR) is defined to be the ratio of the number of dropped
packets to the total number of packets sent. When the available bandwidth drops
below the source rate, packets are queued. Packet dropping occurs when packets are
sent with a rate higher than the current available bandwidth of an outgoing link over
a long enough period of time so that the buffer overflows. Therefore, a good source
rate control scheme should at least follow and not go above the average available link
(a long term measure) bandwidth for a long period of time.

Transfer Time (7}.,s) is the time it takes to send a given size of data from a

source to a destination.

4.2 Effects of Heterogeneity

In this section, effects of heterogeneity on QoS’s of an individual message are an-
alyzed by computer simulations. The bandwidth of each channel, B;(t), is assumed
to be independently and uniformly distributed between B and B;"**. Other distri-
butions such as a truncated Gaussian distribution have been considered, but lead to
qualitatively similar results. Therefore, the results for the uniform distribution only

are provided in this dissertation.
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4.2.1 Feedback Latency

In Figure 4.3, where the notation Tiuera = [X, Y] indicates that Tj,servar 1S
uniformly distributed between X and Y, effects of T¥ecgpaer On throughput and end-
to-end delay are analyzed for a serial path of 4 links. It is seen that throughput is
almost independent of T¥eegpacr While it decreases as 6p increases (refer to Figures
4.3-(a)). This is because throughput is mainly determined by the average bandwidth
of the path as will be discussed later on. However, T¥cecapack has a significant effect on
the end-to-end delay as can be seen in Figure 4.3-(b). The longer the feedback latency
is, the longer the end-to-end delay results. When the feedback latency is longer, the
duration of mismatch between the source rate and the bandwidth of the bottleneck
link is longer leading to a longer end-to-end delay per packet due to longer queues

along the path.
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Figure 4.3: Effects of Teedback on (a) throughput and (
Tintervar=[0.01,5.00]s, T\ypdate=0.01s, N = 4, b;=1000 pps, and 7, = 6 for all i.
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4.2.2 Temporally Heterogeneous and Spatially Homogeneous
4.2.2.1 Serial Path

For a serial path of a single link, it is not difficult to show that the average

transfer time, ti.qns, and the normalized standard deviation of transfer time, oy,,,,.,

can be derived as tiqns = % and Gy, = = Zirans — 5\3/%/5 , respectively, where S is

ttrans

the size of data. Now, consider a serial path of N links where b; = b and op, = 05
for all 2. The source rate follows the bandwidth of the bottleneck link along the
path in the simulation. Therefore, effective bandwidth, Bey fective, Of the serial path
can be approximated as that of the bottleneck link. The average effective bandwidth,
be f fective, Which is equivalent to throughput, can be derived as follows (for the uniform

distribution).

beffective = E[Beffective] = E[mlnz{Bz}]
B N — 1(Bmaa: _ Bmm)
N+1 2
N -1
= 1——"+V3Gg 4.2
1 - N V) (42

From Equation 4.2, one can see that the average effective bandwidth decreases as
op (temporal heterogeneity) increases, and the decrease is larger (as large as v/35 )
for a longer path (a larger N). The more links are involved in a path, the higher the
probability that min{B;} will be smaller. This is verified by the simulation results in
Figure 4.4-(a), where it is clear that the simulation results show a good match with

the theoretical predictions.

47



1000 25
900} 220
% 20l
— _ £ i
g 800f «N=2 =
75’ 700 N=6 > 3 15¢
;; ~N=4 2
2 600 1ol
= e
£ 500¢ .

g % —+N=2||
400/| — theoretical ©-N=4
300 —— simulation B (; —<N=6

0 0.1 0.2 6— 0.3 0.4 0.5 0 0.1 0.2 = 03 0.4 0.5
B 0-B

(a) (b)

Figure 4.4: (a) Throughput and (b) end-to-end delay on a temporally heterogeneous
serial path of N links. S = 10° packets. b; = 1000 pps and o5, = g fori=1,..., N.

The end-to-end delay is the sum of delays on N links. The delay on an individual
link includes the transmission and queueing delays (refer to Section 4.1.2). The
queueing delay increases as 7 g increases since the probability and degree of bandwidth
mismatch between adjacent links increase leading to longer queues. Therefore, the

end-to-end delay increases as o3, and/or N increase as shown in Figure 4.4-(b).

4.2.2.2 Parallel Path

In Figure 4.5, the transfer time and throughput achieved on a parallel path are
plotted. In this parallel path, each path is composed of a single link. S; = 10° packets
for j = 1,..., N, where S; is the size of data transferred over path j, i.e., the total
size of data is 10°N, packets transferred over N, paths. It can be seen in Figure
4.5-(a) that transfer time increases up to 16% as op increases when N, > 1. The
increase in transfer time is larger for a larger N,. In Figure 4.5-(b), the aggregated
throughput over N, paths is plotted as a function of N,. Ideally, it is to increase

linearly proportional to N,. However, throughput is degraded from the ideal one as
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N, increases, with a larger degradation for a larger g5 (up to more than 40 % when
N, =19 and 65=0.4).

Note that the results in Figure 4.5 are for the cases where each path consists of
a single link. By referring to Figure 4.4, it should not be difficult to see that effects
of 65 and/or N, are larger on a parallel path when the number of links per path is

greater than one as verified in the simulation.

4.2.3 Temporally and Spatially Heterogeneous

In addition to temporal heterogeneity on each link, different links may exhibit
different characteristics, i.e., b; # b; and/or o, # o, for i # j. In this section, only
the results for cases where b; = b for all 4, but 6p, # op, for i # j, are presented.
However, in practice, even when b; # b;, it is often the case that the allocated average
bandwidth is the same for all links. For instance, it would not be optimal to allocate

different average bandwidths on different links along a serial path since the overall
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Figure 4.5: (a) Transfer time and (b) throughput on a temporally heterogeneous
parallel path consisting of N, paths with one link per path. S;=10° packets and

b;=1000 pps for j =1,..., N,.
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effective bandwidth of the path mainly depends on the bottleneck link, i.e., the link
with the lowest (average) bandwidth. Note that a link with a large 5 may become
a bottleneck link even though its average bandwidth is not the lowest. Nevertheless,

cases where b; # b; are considered for the application examples in Section 4.3.

4.2.3.1 Serial Path

In Figure 4.6, b; = 1000 pps for all ¢+ and op, is varied with op, fixed for ¢ =

2 N.

In Figures 4.6-(a) and (b), op, is fixed at 0.1 for : = 2,..., N, and 5, is varied
from 0 to 0.52. It is clear that throughput is degraded significantly (close to 20%)
due to spatial heterogeneity in {7} as op, increases. The relative degradation in
end-to-end delay is larger as shown in Figure 4.6-(b). As spatial heterogeneity among
links increases, the probability and degree of bandwidth mismatch between adjacent
links increase, which causes a longer end-to-end delay for each packet as discussed
in Section 4.2.2.1. When op, for i = 2,..., N is fixed at 0.52, the change of spatial
heterogeneity in {Gp,} is smaller as dp, increases from 0 to 0.52. Therefore, the

relative degradation in throughput and end-to-end delay, as 6, increases, is less as

can be seen in Figures 4.6-(c) and (d).

4.2.3.2 Parallel Path

In Figure 4.7, the average bandwidth is the same for all links, but op; is dis-
tributed linearly among NV, paths such that its mean among the paths is unchanged.

In quantifying spatial heterogeneity, A5B:5B1‘5BNp is adopted. Over each of the N,
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paths, the same amount of data (S; = 10° packets for all j) is transmitted, and the
transfer time is determined by the “slowest” path.

The results show that the transfer time increases substantially as Agg gets larger.
The increase in transfer time is larger when each path becomes longer. This is because
the temporal (effective) bandwidth heterogeneity of each path increases as the path

length increases.
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Figure 4.6: Throughput and end-to-end delay on a temporally and spatially hetero-
geneous serial path with b,=1000 pps for ¢ = 1,...,N. (a) & (b): a5, = 0.1 for
i=2,....,N; (c) & (d): o, =0.52 for i =2,...,N.
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Figure 4.7: Transfer time on a temporally and spatially heterogeneous parallel path:
(a) each path is a single link, and (b) each path consists of 2 links where Agp = 7p,-
OBy, - b; = 1000 pps and S; = 10° packets for j = 1,..., N,,. o, is varied linearly
over N, paths for j =1,..., N, such that its mean is fixed at 0.26.

It is also seen that transfer time is longer for a larger N,. As more paths are
involved in a parallel path, the probability that the variation of effective bandwidth
among the paths is larger increases, which makes the (average) transfer time longer.

Note that transfer time of a message transmitted over multiple paths depends on the

“slowest” path, i.e., the path which finishes its transfer last.

4.3 Applications

In this section, two examples where effects of heterogeneity in channel bandwidth

may be taken into account in order to improve (optimize) certain QoS’s are considered.

4.3.1 Path Selection

In Figure 4.8-(a), a parallel path is shown, where each path consists of 4 links.

Note that the average bandwidth of the links on path 3 is higher than those on paths
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Figure 4.8: (a) A parallel path where the number of links is the same for all paths,
and (b) a parallel path where the number of links varies with path. The number pair
in brackets over each link represents b, and o, of the link.

1 and 2, but &p, (heterogeneity) is also larger for the links on path 3 than those on
paths 1 and 2. 75, is constant for all links on path 1 while it is linearly distributed
over the links on path 2. Note that the mean of o, for all links on each path is the
same for both paths 1 and 2. In Figure 4.9, the three paths are compared in terms of
end-to-end delay and transfer time. First, it is seen that path 3 performs worst among
the three in both QoS’s though its average bandwidth is higher than that on the other
paths. This is due to its high temporal heterogeneity in bandwidth. Comparing paths
1 and 2 which have the identical b;, one can see that path 1 performs slightly better
than path 2 since spatial heterogeneity (among links) is higher on path 2 than on
path 1. Therefore, one should consider {7p,} in addition to {b;} in selecting a path,
in order to optimize the QoS’s.

Figure 4.8-(b) shows another example of a parallel path where the number of
links varies with path, in this case, 2, 3, and 4 links on paths 1, 2, and 3, respectively,
is considered. All links have the same average bandwidth, but ¢p; is largest on path

1 and smallest on path 3. In Figure 4.10, the same QoS’s, end-to-end delay and
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Figure 4.9: Comparison of the three paths in Figure 4.8-(a) in terms of (a) end-to-end

delay and (b) transfer time.

transfer time, are used to compare the three paths. The smallest delay and transfer

time are achieved on path 3 which is the “longest” (the largest number of links) among

the three paths. Path 1 performs worst due to its highest (temporal) heterogeneity

though it is the “shortest.” Therefore, one should not simply select the shortest path

even when the average bandwidth is the same on all links.
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Figure 4.10: Comparison of the three paths in Figure 4.8-(b) in terms of (a) end-to-

end delay and (b) transfer time.
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Implementation

Two cases may be considered: (i) the source has the information on the behavior
(b, op,) of each link, and (ii) the source does not have this information. In the case
(i), an analytic formula or look-up table which relates a given QoS to the set {b;,7p,}
characterizing a path is to be derived. If a path is temporally heterogeneous but
spatially homogeneous, an analytic formula may be obtained for certain distributions
as shown in Section 4.2.2.1 for the QoS of throughput which is proportional to the
effective bandwidth of a path. However, for a temporally and spatially heterogeneous
path, it is much more challenging. With such an analytic formula or table available,
a source refers to it in order to select a path when there are more than one possible
path.

In case (ii), the source needs to estimate a given QoS by measuring it for each

possible path before the selection process.

4.3.2 Multi-Path Data Transfer

Consider cases where multiple paths (or a parallel path) are available for trans-
ferring a large size of data. That is, the data is partitioned for simultaneous transfers
over multiple paths. In order to minimize the overall transfer time, it is necessary to
determine how much data is to be transferred over each path (or equivalently trans-
mission rate for each path), considering bandwidth heterogeneity on the multiple
paths. Let’s define percentage reduction in transfer time as berans—trans 5 100 where

ttrans

tirans 18 the transfer time achieved when the partitioning is done considering only
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the mean of each link’s bandwidth, and ¢}, is the transfer time obtained by con-
sidering the normalized standard deviations (heterogeneity) of link bandwidths also.
Similarly, percentage reduction in end-to-end delay may be defined as % x 100.

Recall that S denotes the total size of data and S; the size of data to be trans-
ferred over path j, ie., S =73,;S5;. In Figure 4.11, cases where 2 paths are employed
for data transfer and all links have the same average bandwidth (b = 1000 pps) are
considered. Note that one would normally partition S so that S; = S5 since b; = bs.
However, that does not lead to the optimal performance. In Figure 4.11-(a), both
paths have the same number of links (V). It can be seen that a significant reduction
of up to 28% in transfer time is achieved by assigning more data to the path with
lower temporal heterogeneity, path 1 in this example. Also, the reduction becomes
larger when there is a larger difference (spatial heterogeneity) between 75, and 7p,
and when each path is longer (a larger N). In Figure 4.11-(b), cases when each path
has different number of links (/V; # N3) are considered. The similar observations can
be made in this result. However, the reduction is larger since N; # Ny leads to higher
spatial heterogeneity (between the two paths).

It is also shown in Figure 4.11 that the simulation results provide a good match
with the theoretical ones (optimum).

The results for cases where by # bs, i.e., two paths have different average link
bandwidths, are shown in Figure 4.12. S; is the size of data to be transferred over
path j when only the mean of link bandwidth {b;,j7 = 1,2} is taken into account,
i.e., S is linearly proportional to b;.

Let S} denote the size of data to be transferred over path j when considering

{0B,,7 = 1,2} in addition to {b;,j = 1,2}. In Figures 4.12-(a) and (b), it can be seen
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Figure 4.11: Reduction in transfer time on a parallel path (N, = 2). b; = 1000 pps
for j =1,2. S=S; + S=2 x 10° packets.

that the minimum transfer time (maximum reduction) is achieved by assigning a size
of data larger than S; to path 1 on which temporal heterogeneity (dp,) is lower than
on path 2. The larger the difference in temporal heterogeneity between the two paths
(i.e., the larger the spatial heterogeneity), the larger the reduction. Also, a larger
reduction is possible when the path with lower temporal heterogeneity (path 1) has

a higher average bandwidth. In addition, there exists an optimal point at which the

reduction is maximized, and the value of Sigsl for the optimal point depends on b,

and b,.

In Figures 4.12-(c) and (d), the reduction in the end-to-end delay shows a mono-

tonic behavior, i.e., always increasing as 'z increases. This is the case since the

per-packet delay is reduced as a larger fraction of message is transmitted over the

path with lower temporal heterogeneity, path 1 in this case (65, < dp,). Therefore,

Si—

one is to select a proper value of 551 depending on which QoS is to be optimized.

Note that the heterogeneity among paths is likely to increase as [V, increases,

and this would lead to an even larger maximum reduction in the transfer time.
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Implementation

The main issue in multi-path data transfer is how to divide a given large size of

message over multiple paths to be utilized simultaneously for the message, given the

effective bandwidth and its variation (b;,7p,) for each path j. Consider the QoS of

transfer time of a message. How the message is to be divided to minimize its overall

transfer time is equivalent to dividing a computational task over multiple temporally

heterogeneous computers for minimizing the parallel execution time. In Chapter 3,
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an effective load balancing strategy was described along with its performance analysis
results. This strategy consists of two steps where a task is partitioned proportional to
the average computing power available on the computing nodes in the first step and
the partitioning is adjusted by considering the standard deviations of the available
computing powers in the second step. A similar scheme can be employed for balancing

communication load over temporally heterogeneous paths.
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CHAPTER 5

SOURCE RATE CONTROL FOR HETEROGENEOUS COMMUNICATION SYSTEMS

Based on the analysis results in Chapter 4, the issue of controlling source rate
in order to optimize performance of a communication task is considered, and a het-
erogeneity aware approach to source rate control is described along with simulation

results in this chapter.

5.1 Temporal Heterogeneity under Different Time Scales

Temporal heterogeneity of the available bandwidth on a communication path
depends on the activity patterns of different network applications and protocols and
can be decomposed into two components, long-term and short-term, in the time do-
main. Long-term heterogeneity is caused by the initiation and termination of long
sessions, such as large file transfers, real time video and audio streaming, and other
bandwidth reservation applications. These types of applications “dominate” the vari-
ation of available network resources (bandwidth, buffer, etc), and exhibit slow-varying
characteristics.

Short-term heterogeneity is due to short-duration network traffic, such as the
overhead in packet processing, buffering, and forwarding, and other sporadic net-
work activities. Examples include Internet Control Messages (ICMP, RSVP), user
inputs/outputs of a terminal session (telnet), browsing (small) web pages (http),

messenger services (msn/yahoo messenger, icq) most of which are based on UDP,
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and short email messages (smtp, pop3). Dynamic behaviors of some transport layer
protocols, like AIMD in TCP, also cause some short-term variation. This type of

heterogeneity is relatively unpredictable.
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Figure 5.1: Ilustration of long-term and short-term temporal heterogeneity of the
available bandwidth sensed by one flow (flowg) on a path.

A simplified illustration of long-term and short-term temporal heterogeneity,
where multiple flows share a bottleneck link with a capacity of 1 Mbps, is given in
Figure 5.1. The available bandwidth sensed by a certain long-duration flow (say
flowy) over time is plotted in this figure. The queueing scheme is assumed to work
in a fairly weighted round-robin fashion, i.e. the ideal effective bandwidth shared by
flowy is 1Mbps/ns, when there are ny co-existing long-duration flows. The “contour”
of the available bandwidth (marked by the dotted lines) represents the ideal share for
flowy, and could be modelled by 1 Mbps/ny. Starting from time A, there are 3 co-
existing long-duration flows, so the available bandwidth for flow, is approximately
1Mbps/3. At time B, one of the long-duration flows is closed, and the available

bandwidth increases to about 1Mbps/2. When one more flow is dropped at time C,
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all bandwidth of the link (1Mbps) is allocated solely to flowy, but after another flow
is introduced at time D, the available bandwidth drops back to about 1Mbps/2.
Compared to the short term temporal heterogeneity (“spurs” in Figure 5.1), the
long-term heterogeneity has a longer time duration and is much easier to track. For
example, when the long-term sessions have a duration significantly longer than the
synchronization interval of a rate control scheme, the source rate could be adjusted
so that it can follow the shape of the available bandwidth contour. However, it is
neither possible nor necessary to follow the short term spurs, because they usually

vary much faster than the rate control scheme can handle.

5.2 HAA Source Rate Control

5.2.1 Overview of the HAA Source Rate Control Scheme

The main idea of HAA source rate control scheme is to have the source rate follow
the long term variation in the available bandwidth, and at the same time to adjust
it by means of a “penalty factor” which is derived from the short-term heterogeneity
(refer to Section 5.2.5). A finite-size feature extractor is used to collect statistical
information on those short term spurs, which is used in the source rate controller.

Figure 5.2 shows the general abstract architecture of the HAA source rate control
scheme which consists of four components: Available Resource Measurement, Feature

Extractor, Source Rate Allocator, and Source Rate Controller.

Available
al Le | Feature Source Rate Source Rate
Resource —> Extractor =P Allocator —  Controller

Measurement

Figure 5.2: The abstract architecture of the HAA source rate control scheme.
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The Available Resource Measurement component is responsible for measuring
the available resources of interest, which include the available bottleneck bandwidth
(ABBW) of a network path and available buffer size on each router. The proposed
scheme only measures ABBW. ABBW ((t) refers to the minimum bandwidth of all
inter-router links at time ¢, i.e., ABBW (t) = min®,{B;(t)} where i is the link id
and B;(t) is the available bandwidth of link ¢. Later in this dissertation, the notation
ABBW, will be used to represent ABBW measurement samples, where [ is the sample
index.

The Feature Extractor extracts quantified heterogeneity information (features)
from the measurement samples of the available resources. Typical features are the first
order moment (mean), the second order moment (deviation), minimum, maximum,
and median of measurement samples for a certain time duration. Currently, only the
mean, deviation, minimum, and maximum are used in the proposed scheme.

The Source Rate Allocator is responsible for computing the appropriate source
rate for the corresponding communication session based on the extracted features,

and the Source Rate Controller is the one which actually controls the source rate.

Source Node Sink Node
(Sender) (Receiver)
/\ Down Stream

(Data Packets)

Bandwidth
Measurement
Feature Extractor
e
1 Rate Allocator

Source
Rate
Controller

Up Stream
\/ Control/Sync Packets

Figure 5.3: Hlustration of the proposed HAA communication model.

The schematic diagram of the proposed HAA source rate control communication

model is shown in Figure 5.3. The receiver is responsible for measuring the bottleneck
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bandwidth, and extracting the features from the bandwidth measurement samples.
It then periodically (by default one round-trip-time) sends control packets, which
contain the information on the allocated rate, to the sender. Upon receiving each

control packet, the sender tries to adapt the allocated source rate.

5.2.2 Bottleneck Bandwidth Measurement

The bottleneck bandwidth is measured with a packet pair [28][29][30] based ap-
proach in the current implementation. The source sends out data in the form of
back-to-back packets, and measurement of ABBW (t) is performed on the receiver
side. An up-link (from receiver to sender) carries control packets and a down-link
(from sender to receiver) transmits data. The latter has a much heavier load and
experiences higher heterogeneity than the former. As a result, the receiver side mea-
surement can get more accurate and timely information on the network load.

Figure 5.4 shows the transmission of packets along a network path. In order
to avoid errors due to lost or out of order packets, ABBW is measured only for
“valid packet pairs” received. A valid packet pair consists of two packets received
successively where the first packet with an even sequence number, 2, is followed by
the other with the sequence number of 2/ + 1.

ABBW measured by the Ith valid packet pair (ABBW)) is

1
ABBW, = ———M— 5.1
" Ty — T (5.1)
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Figure 5.4: Hlustration of packet-pair based bandwidth measurement. The horizontal
dimension is time, and from top to bottom along the vertical dimension are the sender,
intermediate links, and the receiver. Numbers in small boxes are the packet sequence
numbers.

where Ty, and Ty, are the receiving times of two packets received consecutively.
The time difference AT; = Ty 1 — T3 is dependent on the available bandwidth of the

bottleneck link.

5.2.3 Feature Extractor

The features that may be used in the proposed scheme include the mean (abbw),
standard deviation (o 45pw ), minimum (ABBW™™), and maximum (ABBW™) of
available bottleneck bandwidth measurement samples (ABBW;) within an interval,
as shown in Figure 5.5. All features are calculated over a sliding window of size
L (in terms of the number of packet pairs), which has a longer time duration than
the sampling interval. A feature extractor is designed to extract the features for
the measurement samples of the last L packet-pairs (from ABBW,_r.; to ABBW)),
where L is the size of the feature extractor and [ is the packet-pair index (or sample
index). The feature interval is defined to be the time interval over which the L packet

pairs are spread.
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Figure 5.5: Feature extractor.

In order to reduce the computing and storage complexity, two accumulators
(Ay, Ay) are employed for the sums of ABBW,; and ABBW}?, and two other memory
variables (ABBW ™ and ABBW ™) are used to record the maximum and minimum
values for the last L samples. The initialization code is executed immediately after
the first valid packet pair is received and the corresponding ABBW is obtained (reset
A; and Ay to L x ABBWj and L x ABBW¢, respectively); the iteration code is to
calculate the sum of the last L ABBW,; and ABBW}? after each valid packet pair [ is
received; and the extraction code is performed at every control interval, which will

be described in Section 5.2.5. These codes are shown in Figure 5.6.

5.2.4 Simple Source Rate Allocation Approaches

Three simple source rate control schemes are described for comparison with the
proposed scheme (HAA):
Mean-Only Scheme: The source rate may be controlled to follow abbw, the

mean of measured ABBW . This scheme is easy to implement and the throughput is
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/*initialization code*/

Ay =L x ABBW,, Ay = L x ABBW¢
/*iteration code*/

Ay = A+ ABBW, — ABBW,_j,

Ay = Ay + ABBW? — ABBW?

/*extraction code*/

abbw = A, /L

TABBW = \/ﬁfb — L abbuw?

ABBW™% = maz(ABBW;, | —L+1<j<I)
ABBW™" = min(ABBW;, |—L+1<j<1)

Figure 5.6: Initialization, iteration, and extraction codes for the feature extractor.

close to the bottleneck link’s capacity. However, it causes a high dropping rate and a
long end-to-end delay due to the limited packet buffer size.

Scaling Scheme: A scaling factor, a (0 < o < 1), may be employed to make
the system work under a lighter load, thus lowering the dropping rate and end-to-end
delay [29][30]. The main problem with this scheme is that it sacrifices throughput
unnecessarily when the variation of ABBW is small. For example, when « is chosen
to be 0.9, there will always be 10 percent of bandwidth being wasted, even if the
bandwidth variation is very small (or no variation). The situation is even worse when
the bandwidth variation is large and « is not small enough.

Minimum-Bandwidth Scheme: The source rate may be set to the ABBW ™"
at each synchronization interval. However, this is an overly conservative scheme,
especially when the ABBW variation is large. For example, when there is a deep
valley (ABBW™™)  in a feature interval as shown in Figure 5.5, there would be a
lot of bandwidth wasted, since in most of time the available bandwidth is above this

value.
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5.2.5 Heterogeneity Aware Approach

Synchronization

In order to alleviate the network load, control packets are sent to the sender
at every synchronization interval. The synchronization interval determines how
frequently control packets are sent to the sender, therefore, the shorter the synchro-
nization interval is, the faster the sender can adapt the source rate to the variation
of available bandwidth, although more of the up-link bandwidth will be consumed.
Usually, it should not be shorter than one round-trip time.

The synchronization interval in the proposed scheme is a function of time, Tyy.(%),
which is set to be smaller when a larger long-term variation is detected, so that the
source rate can adapt to the actual ABBW faster. The effect of T}, is discussed in

the next section.

HAA Source Rate Function

The main idea of the proposed scheme is to derive the desired source rate r, at
every synchronization interval, based on the set, E'F}, of extracted features including
abbwy, GaBw,, ABBW™"  ABBW;™*  where k is the synchronization interval
index. A general form of HAA source rate function f(ABBW}, EF}, t) is shown in

Equation 5.2.
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An implementation of the source rate function is shown in Equation 5.3, which

can detect and utilize both long-term and short-term heterogeneity.

max[ABBW™" abbwy(1 — 8o apew,)]  for Gapsw, < Othreshold;
rs(k) = (5.3)
ABBW, for G apBw, > Othreshoid;
where Oipreshoia 15 selected such that oappw, exceeds it when there is a clear large
scale edge (rising or falling) in ABBW. A significant transition is most likely due
to the release or injection of a long-term competing flow, and the magnitude of the
corresponding rise or fall in ABBW is assumed to be significantly larger than the
variation due to the short-term heterogeneity.

When G appw, is less than Gypreshoid, 7's(k) is penalized by 8 X Gagpw,, but is set
no lower than ABBW™". 3 is a penalty factor which controls how much the source
rate should be penalized for the heterogeneity. The rationale is that the source rate
gets a less penalty when Gappw, (short-term heterogeneity) is small, and a larger
penalty when o 4ppw, is large.

When 7 4ppw, becomes greater than op,eshoid, 1-€-, a clear rising or falling edge,
rs(k) is set to the most recent ABBW), in order to obtain a more accurate estimation
of the long-term variation in the current implementation. Also, in order to get a
faster response, Ty, is made much smaller (thus faster) than the other operation
mode.

Due to the delay from the ABBW to abbw, the source rate is over-estimated on
the falling transitions and under-estimated on the rising transitions. Some more so-

phisticated predictive scheme could be developed to further improve the performance.
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Adaptive Penalty (/)

The main issue in the proposed HAA approach to source rate control is how

to select a proper value of the penalty factor (). In many cases, the users specify

QoS requirements that their applications should meet. A typical specification of QoS

requirements is given below:

QoS requirements

Throughput :
End-to-End Delay

Dropping Rate :

thr > THRmzn
Cotee < Telman (5.4)

dr < DR,,0x

The means (averages) of throughput (THR), end-to-end delay (7Tee), and drop-

ping rate (DR) are denoted by thr, t.., and dr, respectively. T H R,,;,, is the minimum

throughput requirement, and Tee,,,,, and DR,,,, are the upper bounds of the end-

to-end delay, and dropping rate, respectively. These are all user-specified parameters,

and are given during the session admission control stage.

—— Throughput (thr)
- - - End-to—-End Delay (tee)
- Dropping Rate (dr)
dr thr
% :Bmin :Bmax
ol — B

min

Tee

\@..
....

DR

7/
iy,

T T T

max

max

0.5

1
B

15

Figure 5.7: QoS requirements and valid range of /3.
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The proposed scheme determines the valid range of 3 so that all the QoS require-
ments can be met by adaptively adjusting (3. This is based on the fact that each QoS
measure mentioned above is a monotonic function of 3, and hence the upper/lower

bounds of  for each QoS measure (QoS; can be found via a simple heuristic search.

Throughput : pihr < ghr
End-to-End Delay : Bfec > glec. (5.5)
Dropping Rate : pir > par

where gthr gt “and B9, are the upper/lower bounds of 3 that satisfy the re-

quirement of throughput, end-to-end delay, and dropping rate, respectively, as shown
in Figure 5.7.
And the valid range of 3 which satisfies all the QoS requirements is

max (B, BT Y < Boatia < B (5.6)

min’ Mmin max

If maz(BLs,, BE,) > B4 mno B can be found to meet all the QoS requirements,
and the admission control thus rejects the flow.

A “Slowly-Decreasing-Fast-Increasing” (SDFI) scheme is proposed to adaptively
determine a near optimal 3. It goes through a 3-stage cycle when a QoS requirement
violation is detected. Let Afg0, denote the “slowly decreasing step” (0.1 by default),
AP a5t the “fast increasing step” (0.6 by default) of 3, and [y the initial value in the

cycle. To reduce the oscillation in the adaptation, a margin is introduced for each
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QoS measure (Q0Smargin), and then the adjusted QoS measures are

THR. . = THR,,+ QoS gin
Tee;nax = Teemax - QOS:;ngin
DR’maz - DRma:v - QOSgr:argm

The margin for each QoS measure depends on the tolerance requirements of

applications. It is either provided by the user as a part of QoS requirements, or set

by the SDFI scheme via experiments. The adjusted QoS measures are “tighter” than

those given in the QoS specification, and are used during the Slowly Decreasing stage.

The complete pseudo-code of the SDFI scheme is shown in Figure 5.8.

{

while (true)

// Fixzed stage
while (tee < T€€mar && dr < DRypor && thr > THRyi);
//Fast Increase stage

6 = 6 + Aﬁfast;

//Slowly Decrease stage
while (te. < Teel, . && dr < DR!

max max

ﬁ = 6 - Aﬁslow;
}

6 - 5 + Aﬁslow;
it(thr < THR!

min

&& ﬂ Z Aﬁslow)

) exit(); //can not meet all requirements

Figure 5.8: Pseudo-code of the proposed SDFIT scheme.

(1) Fixed stage: the receiver keeps checking all the QoS measures, and (3 remains

unchanged until any of them violates the requirement.

(2) Fast Increasing stage: [ is incremented by AfBqs.
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(3) Slowly Decreasing stage: 3 is decremented by Afy,, in each step until the

QoS measure exceeds QQ0S;,,,. [ is incremented by AfBgo, i.€., it returns to the last

axr’
valid value.

The operation of the SDFI scheme is illustrated in the time domain in Figure

5.9.

QoS

0 20 40 60 80
Time (s)

Figure 5.9: Operation of the SDFI scheme.
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CHAPTER 6

PERFORMANCE OF THE SOURCE RATE CONTROL SCHEME

6.1 Simulation Setup

An extensive simulation has been carried out using a widely-used network simu-
lator (ns2 [44]). The performance of a single HAA flow is first studied. The packet
size in all the results in this chapter is 1000 bytes. The size of buffer on each router is
set to be 20 packets by default, and the queuing scheme is the drop-tail round-robin.
The default length (L) of the feature extractor is 15 samples. The default synchro-
nization interval is set to be one round-trip-time, except when a significant transition

in ABBW is detected.

Topology
Source Node Sink Node
M ns e o . N H
5M, 3ms B1, 10ms B2, 10ms Bn-1, 10mv Bn, 10ms 5M, 3ms

Figure 6.1: Simulation testbench topology for a single path.

The topology of a single path employed in the simulation is shown in Figure 6.1.
The link capacity and propagation delay for local connection links (thick lines) are
5Mbps and 3ms, respectively. For each inter-router link i, the propagation delay is

10ms and the available bandwidth B;(t) is a random variable whose the upper limit
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is b Mbps.

Queue Management

A round-robin like queue management is assumed for the network routers in the
simulation since it offers several advantages over the first-in-first-out (FIFO) packet
schedulers for bursty data traffic. In particular, the round-robin queue management
automatically enforces a min-max fair allocation of resources [45], and ensures that
the “well-behaving” users are protected from the “ill-behaving” ones, which is desir-

able in public data networks [30][46].

Traffic Generation

Instead of directly simulating the background traffic, the available bandwidth on
each link is changed dynamically in the simulation script. This approach enables easy
control of the link bandwidth to simulate the heterogeneity under different scenarios,
and also saves simulation time.

The varying bandwidth is simulated in two dimensions: magnitude and time.
The magnitude variation on a link is independent of those on others and follows a
certain distribution. Several different distributions have been tried, including the
uniform distribution and truncated normal distribution, which all lead to similar
results. Therefore, all simulation results provided in this section assume a uniform
distribution. The magnitude of bandwidth on link ¢ follows a uniform distribution
with the mean of b; and normalized standard deviation of 6p,. In the time dimension,
each random magnitude of bandwidth remains unchanged over a random interval

(Tintervar) Which follows an exponential distribution with a mean of ¢, erpal-
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6.2 Single Flow

6.2.1 Adaptation to Long-Term Bandwidth Variation

6
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(a) Rising Edge (b) Falling Edge

Figure 6.2: Comparison of three source rate control schemes on a path of an inter-
router link whose available bandwidth (ABBW) varies with time. The penalty factor
(B) is set to be 0.7 for HAA.

Figure 6.2 shows how the three different source rate control schemes adapt the
source rate to the available bottleneck bandwidth (ABBW). ABBW is generated
by a “slow” square wave (with a period of 5 seconds and a magnitude of 1 to 3Mbps)
plus a high-frequency variation. The average interval of the high-frequency component
is H50ms and the magnitude is no greater than 500Kbps. It is shown that all three
schemes can follow ABBW on a large time scale, but the minimum-bandwidth scheme
is too conservative to utilize the available bandwidth efficiently, and the mean-only
scheme is too greedy, as the allocated bandwidth is higher than ABBW for about half
of the period, and thus leads to a large dropping rate. The proposed scheme (HAA)

tends to adopt a rate between those by the mean-only and minimum-bandwidth
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schemes in an effort to optimize the performance such as throughput and dropping

rate.

6.2.2 Feature Extractor Size and Average Bandwidth Updating Interval
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Figure 6.3: Effects of feature extractor size (L) and tinservar- N=4, d5,=0.17 for all 4
links.

In Figure 6.3, effects of the feature extractor size (L) and average bandwidth
updating period (tintervar) On the dropping rate and end-to-end delay are analyzed.
Comparing # = 0 and § > 0 (HAA), it is seen that the improvement by HAA is
more significant when the bandwidth varies more rapidly (iierva=0.5, dashed lines
in the figure). Also, the results indicate that the feature extractor size L should not
be too small. The performance (in terms of the dropping rate and end-to-end delay)
for L=15 or 30 is better than that for L=5, while the improvement by L=30 over

L=15 is not very large, therefore, L=15 is used in most cases of the simulation.
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6.2.3 HAA Compared with Packet Spacing Protocol (PSP)

HAA essentially uses a packet spacing approach to adjust the source rate at
the sender. It is compared with the Packet Spacing Protocol (PSP) [41][42], which
is another packet spacing based rate control scheme. The comparison results are
provided in Figure 6.4.

The penalty factor 3 is set to 0 in this simulation, i.e., non-adaptive and with no
heterogeneity penalty. It can be seen that the source rate variation of the proposed
scheme is much smaller than that of PSP (Figure 6.4-(a)). The effective throughput
(Figure 6.4-(b)) of HAA is about 25% better than that of PSP, and the improvement
becomes even larger when the heterogeneity (o) increases. The dropping rate is also
decreased significantly, especially when g is small, from 0.004 to almost 0. The only
measure that is worse for the proposed scheme than for PSP is the end-to-end delay.
However, it should be noted that PSP drops more packets which are not counted

toward the end-to-end delay, and HAA achieves a significantly higher throughput.

6.2.4 HAA versus Mean-Only and Minimum-Bandwidth Schemes

In Figure 6.5, the effect of § on the performance of HAA is analyzed and HAA is
also compared with two other fixed rate control schemes (mean-only and minimum-
bandwidth) under two different bandwidth varying scenarios: tiniervar = 0.05s (fast)
and tipervar = 0.5s (slow).

In each scenario, three sets of results are obtained for three different levels of

heterogeneity (o5, = 0.06, 0.17, and 0.29, respectively) with 3 varied. The results for
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Figure 6.4: Comparison of HAA (5 = 0) with PSP.

HAA are shown in the solid curves and the corresponding results for the minimum-
bandwidth scheme in the dotted curves. Note that the results for the mean-only
scheme correspond to the y-intercepts of the solid curves (5=0).

It can be seen that, there is a trade-off between the throughput and end-to-end
delay/dropping rate. As 3 increases, the end-to-end delay and dropping rate decrease,
but the effective throughput also decreases. It is the adaptive algorithm’s task to find
a proper value of # (refer to Section 5.2.5). Also, the effect of 5 becomes more
significant for higher heterogeneity (g5,=0.29, open circles in the figures), especially

for the dropping rate and throughput.
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Figure 6.5: N = 4, each link’s bottom link bandwidth (B;(t)) follows a uniform
distribution, with deviation &p,. “(min)” in the legend stands for the ”minimum-
bandwidth” scheme.

By utilizing the information on heterogeneity, the end-to-end delay (Figure 6.5-
(a) and (b)) and the dropping rate (Figure 6.5-(¢) and (d)) can be reduced signifi-
cantly compared to the mean-only scheme (when 5=0).

The end-to-end delay and
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dropping rate in the case of a more rapidly varying bandwidth (¢;,erva=0.05 in Figure
6.5-(a), (c), and (e)) decrease even faster when the penalty factor () is increased,
compared to the case of a slowly varying bandwidth (#;nter0a=0.5 in Figure 6.5-(b),
(d), and (f)). However, the throughput also drops more for a more rapidly varying
bandwidth. This is because when t;,serva; 1S large (slowly varying bandwidth) and the
extractor size (L) remains the same, the measured bandwidth deviation (5) would
be less than the steady state (theoretical) deviation which is defined for a very long
time duration, therefore, the throughput is degraded less.

And as expected, the minimum-bandwidth scheme matches HAA when [ is close
to 1.5. The reason is that when the bandwidth variation follows a uniform distribu-
tion, the minimum value of the distribution is around mean —dev /3, and v/3 ~ 1.7.
Nevertheless, there is still a room for performance optimization. For example, when (3
is set to 1.0 for t;,er0a=0.05, performance of HAA is similar to that of the minimum-
bandwidth scheme in terms of the end-to-end delay and dropping rate, although its
throughput is significantly (at least 10%) higher than that of the minimum-bandwidth
scheme.

It can also be seen that all the performance measures vary monotonically with
(. Therefore, with the adaptive rate control scheme one could start from a conserva-
tive value of (3, such as 2.0, which is slightly more conservative than the minimum-
bandwidth scheme, and decrease (3 by a step size of AS, until any of the requirements

is violated (refer to Section 5.2.5).
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6.2.5 Effects of Spatial Heterogeneity

The effects of different spatial distributions of mean bandwidth (b;) on each link
1 are studied and the results are shown in Figure 6.6. Four different scenarios are

simulated on a path consisting of 1 to 9 links.

e scenario “one bottleneck”: b; is set to 2Mbps for the middle link and to 5Mbps

for all the other links.

e scenario “increasing b;”: 0b; linearly increases along the path from 2Mbps to

5Mbps (set to 2Mbps if there is only one link).

e scenario “decreasing b;”: b; linearly decreases along the path from 5Mbps to

2Mbps (set to 2Mbps if there is only one link).

e scenario “uniform b;”: b; is set to 2Mbps for all links.
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€ 100
@ B > [
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= T 80f
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2 15 [=<-one bottleneck : | 2 —%-one bottleneck
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(a) Throughput (b) End-to-end delay

Figure 6.6: Effects of path length. All o, are set to 0.17.

Figure 6.6 shows that, the “uniform b;,” scenario has the worst performance in

terms of throughput, because it does not have a fixed bottleneck, i.e., every link has
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the opportunity to be the bottleneck. According to the previous results (Equation
4.2) on effective bandwidth of a network path consisting of links with identical mean
bandwidth, and the fact that the throughput can be no more than the effective
bandwidth (be s fective) Of the path, the throughput decreases when increasing the path
length.

In the “one bottleneck” scenario, the throughput is almost independent of the
path length. This is because the network path has only one bottleneck in a fixed
position. All the other links’ bandwidths are much larger than the bottleneck band-
width in the first scenario, therefore, the range of the bandwidth variation of other
links (from 3.5 to 6.5 Mbps ) does not overlap with that of bottleneck link (from 1.4
to 2.6 Mbps).

The “increasing b;” and “decreasing b;” scenarios fall between the two scenarios
discussed earlier. It can be seen that, the throughput of the “increasing b;” scenario
is less and decreases more than that of the “decreasing b;,” scenario. This is because,
when the links closer to the source node are slower, the faster links which are closer
to the receiver node will be under-utilized. This effect becomes more significant when
the path length increases.

Figure 6.7 shows how different spatial distributions of temporal heterogeneity
along the path affect the performance of the proposed scheme. Three different sce-
narios are simulated for a path of four links. Note that the average of Gp, along
the path is the same in all cases. The first scenario (cross marks) has the smallest
spatial heterogeneity in terms of link bandwidth variation (0.18 0.18 0.18 0.18) along
the path, and the third scenario (circle marks) has the largest (0.0 0.12 0.24 0.36).

It can be seen that the scenario with the largest spatial heterogeneity leads to the
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worst performance, with the lowest throughput and the largest dropping rate and

end-to-end delay.
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6.2.6 Packet Inter-arrival Time

The packet inter-arrival time (AT') is an important performance measure for
a real-time media (video or audio) streaming application. A large variation of AT
usually indicates a notable discontinuity or jitter on the receiver side. To provide a
stable stream, AT should be as even as possible (assuming a fixed packet size). The
histograms of AT for TCP and HAA flows are shown in Figure 6.8. It can be seen
that AT has a much sharper histogram (i.e., a smaller variation of A) and a smaller
mean (i.e., a higher average rate) for HAA than TCP. Also, note that there are some
components located at much larger values than the main components (around 40ms
for 4 links and 240ms for 12 links) in the TCP histograms. This is due to the bursty
nature of TCP traffic.

Figure 6.9 provides a qualitative comparison of TCP and HAA in the normalized
deviation of AT (Gar), and it shows that gar of HAA is much smaller and less

sensitive to (almost independent of) the path length than that of TCP.

6.2.7 Adaptive Penalty

Figure 6.10 shows how the proposed adaptive scheme behaves when the upper-
bound of end-to-end delay (T'ee,q.) is set to a specific value (0.07 seconds in this
example). It is seen that [ decreases from a conservative initial value of 1.9 until the
QoS requirement for the end-to-end delay is violated (at around 25 seconds), and 3

converges to around 1.0, with the end-to-end delay close to 0.07.
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Figure 6.10: Illustration of the proposed adaptive rate control scheme.
6.2.8 Path Selection

Because the source rate (rs), which is calculated on the receiver (refer to Equation
5.3), should be almost the same as the effective throughput of the network path
when the dropping rate is very low, the solution to the path selection problem is
straightforward.

An example network scenario consisting of 3 paths is shown in Figure 6.11. Note
that both path 1 and path 2 have only one bottleneck link, while path 3 has two
bottleneck links. However, the bottleneck bandwidth variation of path 3 is less than
that of paths 1 and 2. Set the penalty factor () to 1.0 for all 3 paths so that the
dropping rate is very low. The simulation results are shown in Figure 6.12.

It can be seen that even though path 3 has the lowest average bottleneck band-
width (abbw) and the longest path length, it produces the highest effective through-
put. This result reveals that abbw should not be the only measure used in the path
selection problem, and that information on the bandwidth variation (G 4ppw) has to

be considered. As can be seen in Figure 6.12, the source rate r; matches the effective
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Figure 6.12: Throughput and End-to-End Delay when the penalty factor (3) is set
to 1.0.

throughput quite well, therefore, it could be used as a good estimate of throughput

when selecting the best path.

6.2.9 Multi-Path Media Streaming

The application of multi-path media streaming with inter-path synchronization
is considered. The topology of the multi-sender (mirror) parallel data transmission
system used in the simulation is shown in Figure 6.13, which is based on the framework

developed in [47]. If all paths are synchronized “perfectly” and all connections are
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reliable, there will be no media packet missed or transmitted more than once. Note
that due to heterogeneity, this perfect synchronization can never be achieved in a
real network. In addition to the performance measures discussed in the previous
sections (throughput, dropping rate, end-to-end delay), which are defined on the
lower network layers, it is necessary to consider performance measures related to the
degree of mis-synchronization on the application layer, missing rate and duplicate
rate.

The missing rate is defined to be the ratio of “blank segments” to the whole length
of the streams received. These blank segments are caused by both mis-synchronization
on the application layer and packet dropping on the lower network layers. The du-
plicate rate is defined to be the ratio of duplicated (those received more than once)
segments to the whole length of the stream received. Both are application-level mea-
sures and are calculated on the receiver side. To simplify the simulation, the segment

size is set to be the same as the packet size.
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Figure 6.13: Simulation testbench topology for multi-path media streaming.

Simulation Results
Figures 6.14 and 6.15 show the simulation results for media streaming over a

network with 2 parallel paths, each with 4 inter-router links. All links have the same

89



average available bandwidth (b=2Mbps) and the links on path i have the deviation

op, for i = 1,2. It is seen that a higher source rate is allocated to path 1 which has a

lower temporal heterogeneity (g5,=0.06), although the average available bandwidth

is the same on both paths, as shown in Figure 6.14-(a) and (b).
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Figure 6.14: 2 paths, each with 4 links, and all links have the same b;=2Mbps, but

different deviation op,.
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Figure 6.15: Application level measures for the scenario in Figure 6.14.

From Figure 6.15, it is interesting to see that both the missing and duplicate

rates decrease significantly. When the penalty factor () increases from 0 to 1.5, the
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percentage reduction is up to 70% in the duplicate rate and 80% in the missing rate,
while the throughput only decreases by 11% for the case of lower spatial heterogeneity
(6, =0.05, 5, = 0.17) and 18% for the case of higher spatial heterogeneity (o5, =
0.05, g, = 0.29) (Figure 6.14-(a) and (b)). This implies that the real-time QoS
(missing and duplicate rates) can be improved without significantly degrading the

effective throughput.
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Figure 6.16: Adaptive rate control on a multi-path network.

Figure 6.16 shows how the proposed adaptive scheme works on a two-path net-
work when the upper-bound of end-to-end delay (T'ee, . ) is set to 0.07 seconds. Note
that $ on each path varies independently and converges to a different value (about
0.3 on path 1 and about 1.0 on path 2). That is, it is shown that the proposed scheme

is also able to handle this type of multi-path communication.

Performance Comparison with TCP
The proposed HAA scheme is compared with TCP on a 2-path network with
each path consisting of 4 links. The results are shown in Figure 6.17. As expected,

the aggregated throughput for HAA is much higher than that for TCP. However, the
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Figure 6.17: Comparison with TCP implementation for 2 paths, each consisting of 4
links.

end-to-end delay is also larger than that for TCP because more packets tend to be
buffered under a higher transmission rate. By adjusting the penalty factor to 1.0,
the End-to-End delay could be reduced significantly and the throughput can still be
maintained at a much higher value than that by TCP.

Figure 6.18 compares HAA and TCP when the penalty factor (3) is fixed to 1.0.
Two network paths are employed and the length of each path varies from 2 to 12.

Note that the throughput achieved by TCP drops dramatically (more than 75%) as
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Figure 6.18: Comparison with TCP implementation (2 paths, ( is fixed to 1.0).

the path length increases up to 12 links, but that by HAA only decreases by less than
15%.

Dependency of the missing and duplicate rates of HAA on the path length is
shown in Figure 6.19. Both rates increase slightly when the network paths become
longer, but are still at a reasonable level; the duplicate rate is around 2.3% and the

missing rate is a little larger than 1.0% when the path length is 12.
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Figure 6.19: Application level measures (2 paths, (3 is fixed to 1.0).

6.3 Multiple Flows

All the results discussed above assume that the variation of the available bot-
tleneck bandwidth (ABBW) is independent of the HAA source rate control, i.e., the
introduction of HAA flows does not affect other background traffic. However, this
may not be the case in real networks. Here, each flow is a part of background traffic
of other flows and the dynamics of its source rate control can change the available
bandwidth and behavior of other flows and, in turn, change its own available band-
width.

In this section, multiple flows sharing a network path with varying bandwidth
are studied. Figure 6.20 illustrates N; flows sharing a network path consisting of
N links. Each flow f; is connected by a separate pair of sender (S;) and receiver
(R;). Assuming that there is no coordination among the flows, i.e., the source rate
of each flow is controlled independently by its sender and receiver pair. The queue
management in this study adopts a basic “Drop-Tail-Round-Robin” scheme to ensure

that all flows on the path have the same level of priority.
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Figure 6.20: Topology of the testing network: multiple flows sharing a network path.

As a comparison reference, the bandwidth utilization of multiple TCP flows
is first analyzed. Next, the performance of multiple HAA flows (with continuous
and periodical On-Off traffic) in terms of aggregated throughput, average end-to-end
delay, dropping rate, and fairness is investigated and compared with that of multiple
TCP flows. Finally, TCP friendliness is verified to see if HAA flows can friendly share

the network bandwidth with TCP flows.

6.3.1 Multiple TCP Flows

The aggregated throughput of multiple TCP flows is first investigated. According

to the approximation model of TCP throughput from [48]

Wmaa; ]'
RTT" RTT\ /22 + Tymin(1,3,/22)p(1 + 32p?)

THyrcp(p) = min( (6.1)

where W4, is the maximum window size, RTT is the round-trip time, T} is the
timeout value, b is the number of packets of transmitted data that are acknowledged

by one ACK from the receiver, and p is the loss ratio. It is not difficult to see that a
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single TCP flow throughput is no more than

Wonas
TH < 6.2
irop < (62)

And when there are Ny TCP flows, the aggregated throughput has an upper-bound

of
Ny

THyrep <)

i=1

Wma:vi
RTT;

(6.3)

From Equation 6.3, it can be seen that, when the maximum window size and Ny are
fixed, a longer path length results in a larger RTT, and subsequently decreases the
maximum possible throughput. This is verified by the simulation, and the results are
shown in Figure 6.21. Both the measured (solid curves) and the estimated maximum

utilization (dotted curves) are plotted, which are defined to be

TH
Measured Utilization = —— % (6.4)

C
Ne s Wooa

Estimated Maximum Utilization = min(1, m) (6.5)

where C'is the capacity of the bottleneck link and it is set to 2Mbps in this simulation.
It can be seen from Figure 6.21 that the utilization becomes higher as more
TCP flows are introduced, especially when the path is short. For example, on a path
consisting of less than 9 links with no variation in ABBW | four TCP flows can achieve
almost 100% utilization in the given scenario (Figure 6.21-(e)). However, as analyzed
earlier, the bandwidth utilization drops significantly as the path length (number of
links) increases, and it reduces even more when there is a larger available bandwidth

variation (¢ ).
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Figure 6.21: Aggregated bandwidth utilization of multiple TCP flows. W,,,,.=15.
(note that some measured utilization curves overlap the estimated max ones)

To further illustrate how TCP bandwidth utilization is affected by the number
of flows and path length, the trace plots of packet arrival times for multiple (N;=1,2,
and 4) TCP flows are provided in Figure 6.22. The simulation is conducted on a
network path consisting of two different numbers of links (N=4 links, and N=12
links). The result shows how the effective aggregated throughput varies as the path
length increases. The FlowID (from 1 to Ny) of each packet is plotted as a function of
time, and each mark indicates a packet arrival event for the corresponding FlowlID.
The duration of each transition on FlowlD represents the time when no packet is
being received, i.e., the idle time of the shared path.

It can be easily seen that multiple TCP flows are received by the receiver in a
bursty and multiplezed manner. When there is only one TCP flow, the “duty cycle”
is about 60% for a short path consisting of 4 links.

A larger number of flows increases the “duty cycle” significantly, for example,
four TCP flows can achieve an almost full utilization on the 4-link path. However, it

can also be clearly seen that the duty cycle (hence bandwidth utilization) shrinks as
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Figure 6.22: Arrival time of multi-flow TCP packets.

the path length increases. For example, when there is only one TCP flow, the duty

cycle is only less than 20% on a 12-link path.
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6.3.2 Multiple HAA Flows

6.3.2.1 Overall Performance
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Figure 6.23: Multiple HAA flows sharing a network path consisting of 4 links, all
links have the same b;=2Mbps and 7,=0.17.

Figure 6.23 shows the simulation results of Ny HAA flows sharing a varying avail-
able bandwidth on a network path consisting of 4 links. Each flow is sent continuously
by the allocated source rate. It can be seen from Figure 6.23 that as the total number

of HAA flows (Ny) increases, the aggregated throughput does not change very much
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(when (3 is fixed). This result shows that multiple HAA flows can still maintain the
overall bandwidth utilization at almost the same level as that for a single HAA flow.

It should also be noted that, when introducing more flows, the dropping rate
increases due to the interaction among multiple HAA flows and the limited buffer
space available. By adjusting the penalty factor () to a larger value, the dropping
rate can be reduced significantly. For example, when [ is set to 1.5, the dropping

rate is reduced to about 1.1%, but the aggregated throughput is degraded by no more
than 12%.
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Figure 6.24: Aggregated bandwidth utilization of multiple HAA flows.

Figure 6.24 shows the dependency of the bandwidth utilization by multiple HAA
flows on the path length and the number of flows. When there is no variation in
ABBW (65,=0.00), multiple HAA flows can achieve almost 100% utilization and
the utilization is almost independent of the path length. In the case with a larger
bandwidth variation (5,=0.29), the utilization decreases as the path length increases,

but the effect of path length is much less significant than that in TCP. The comparison

result will be shown in Section 6.3.3.
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6.3.2.2 Dynamic Performance

To see if the HAA source rate control scheme produces any “exclusive flow”
which permanently uses up all available bandwidth and refuses the injection of other
flows, a scenario with On-Off flow patterns (“scenario On-Off”) is designed. Instead

of continuously sending out packets (“scenario Continuous”), each flow is toggled with

a period of Tyien seconds. The duty cycle is set to be 2]2\7]{,;1, i.e., in each period, the
flow is turned off for Tp,;; = TQ“JT;C" seconds, and turned back on for T, = %QJIN"_I)

seconds. The switching time of each flow is evenly spaced out by Tsyiten /Ny so that
at any time there is at least one flow active (unless Ny=1). A case with two On-Off

flows is illustrated in Figure 6.25.

.
1 =1

LU OO UL

——Flow 1
——Flow 2

5 10 15 20 25
time

ID of enabled flow
e

Figure 6.25: Two On-Off flows with T, =6.

When Ny > 1, the ideal aggregated throughput should be close to that in the
scenario Continuous, because every time one flow is turned off, other active (enabled)
flows are supposed to take over the bandwidth released by the closed flow.

Multiple On-Off flows are considered on a shared path consisting of 4 links in

order to study the effects of bandwidth heterogeneity on the aggregated throughput.
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Figure 6.26: Dynamic performance of multiple On-Off flows. N=4, b;=2Mbps for all
links, and #=1.0 for all flows.

The aggregated throughputs of 2 and 4 On-Off HAA flows are compared to the
throughput of a single continuous flow for the same background traffic setup, and the
results are shown in Figure 6.26-(a). It can be seen that the aggregated throughput
of the scenario On-Off is close to the throughput of the scenario Continuous and even
slightly better when there is a higher bandwidth heterogeneity (65, > 0.1). This
indicates that the active flows can, in a timely manner, take over the bandwidth
released by the inactive flows. The normalized standard deviation of throughput
among HAA flows in the scenario On-Off is plotted as an index of fairness in Figure
6.26-(b). It is seen that the throughput variation among the flows is very small (less

than 2 percent), which means that there is no “irresponsible” flow.
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6.3.3 Comparison with Multiple TCP Flows
6.3.3.1 Aggregated Bandwidth Utilization

The aggregated bandwidth utilization of multiple HAA flows is compared with

that of multiple TCP flows. The improvement in bandwidth utilization is defined to

be

Utpgaa — Ut
Improvement (%) = —— rer

6.6
Utrcp (6.6)

where Utpgaa and Utpep are the bandwidth utilizations of Ny HAA flows and Ny
TCP flows, respectively. The penalty factor (3) of HAA flows is set to 1.0, and the

maximum window size (W,,q.) of TCP is set to 15. The results are shown in Figure

6.27.
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Figure 6.27: Improvement in aggregated bandwidth utilization.
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The improvement in utilization becomes larger when the path length increases.
Also, the improvement is more significant when network links have a smaller band-
width variation (5,=0.00). However, the improvement becomes smaller as the num-
ber of flows increases. For example, on the path of 4 links, the improvement by HAA
over TCP is above 40% when there is only 1 flow, but there is almost no improvement

when there are 4 flows.

6.3.3.2 Inter-flow Fairness
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Figure 6.28: Fairness comparison with TCP.

Figure 6.28 compares throughput variation o,,, an index of inter-flow fairness,
among multiple flows in both homogeneous (65,=0.0) and heterogeneous (¢ 5,=0.29)
cases. It can be seen that in both cases the throughput variation among HAA flows
is much smaller than that among TCP flows, i.e., the inter-flow fairness of HAA is
better. Also, Gy, is heavily dependent on the path length (or round-trip time) for

TCP, but it is almost independent of the path length for HAA.

104



x 10 x 10

N
N

g

Total Throughput (bps)
=

Total Throughput (bps)
[

-0-Nyep™Nyan=1 - Nyep™Nyan=2
—k-Npan=2 —k-Npan™4

2 — NTCP:4

o
wn
:
o
wn

— TCcPT

8.2 0.4 OBG 0.8 1 8.2 0.4 OBG 0.8 1

(a) 2 flows (b) 4 flows

x 10

N
w
3

- Npep™Nyan=1
= NTCP:NHAA:2
- Nrep™Nyan=4

I

=

Total Throughput (bps)
=
HAA/TCP
N

[
4]
T

O-Npep™Nyan™4
—%-Npaa™8 1t

—Nyep=8

8.2 0.4 OBB 0.8 1 0'8.2 0.4 0[.36 0.8 1

(c) 8 flows (d) Throughput ratio (HAA/TCP)

Figure 6.29: Multiple HAA and TCP flows.
6.3.4 TCP Friendliness

Figure 6.29 shows the simulation results for multiple HAA flows sharing the
available bandwidth with TCP flows on a network path of 4 links. In Figure 6.29-(a),
(b) and (c), three sets of aggregated throughput are compared: (1) m HAA flows and
m TCP flows (2) 2m HAA flows, and (3) 2m TCP flows, where m=1, 2 or 4. It can
be seen that the throughput achieved by one TCP flow and one HAA flow together

is slightly lower than that by two TCP flows when [ is large (greater than 0.4), and
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is quite close to that by two HAA flows. However, when the number of flows is larger
(4 or 8 flows), the mixed flow (HAA and TCP) achieves the highest throughput.

To prevent HAA flows from aggressively taking too large a share of the available
bandwidth, § needs to be properly adjusted. Figure 6.29-(d) shows how to ensure
that TCP flows get a “fairer” share by adjusting 3. It can be seen that setting 3 to 1
usually achieves a fairly good bandwidth sharing between TCP and HAA flows, with

a throughput ratio of between 1.0 and 1.5.
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CHAPTER 7

CONCLUSION AND FUTURE WORK

In this dissertation, two types of heterogeneity are defined for heterogeneous com-
puting and communication systems. Temporal heterogeneity (1T'H) refers to variation
in computing power or communication bandwidth available for a task along the time
dimension on an individual computer or channel, while spatial heterogeneity (SH)
refers to variation of the available computing power or communication bandwidth
among computers.

Effects of TH and SH on computing and communication systems are first an-
alyzed to show the possibility of improving the task performance by taking the het-
erogeneity information into account. In addition to the first order moment (mean),
the second order moment (deviation) of resources availability is quantified and explic-
itly utilized to improve performance of computing and communication tasks in the

heterogeneity aware approaches (HAA).

7.1 Computing Systems

The effects of heterogeneity are first studied in terms of average parallel execution
time and standard deviation of parallel execution time on heterogeneous computing
systems (Chapter 2). The results revealed that both TH and SH in computing power
can have a significant effect on the parallel computing performance. To achieve the

minimum 7 on a spatially heterogeneous computing system, it is not optimal to
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distribute a target task linearly proportional to the average computing powers of
computers.

If the computational load is perfectly balanced among computers in terms of the
average computing power available, 7 significantly increases as one or both types of
heterogeneity (T'H and SH) increase, while the average sequential execution time on
a single computer is not affected by TH. As SH increases, T increases more when the
average T'H (among computers) increases than when it remains fixed. As the number
of computers employed for a target task increases, 7 decreases initially and then may
increase especially when SH increases fast. More frequent synchronization amplifies
effects of heterogeneity and degrades performance of a target task more for a higher
TH and/or SH. Performance degradation due to heterogeneity becomes even larger
when the interval is longer (coarser granularity). The risk factor and variation of
parallel execution time is quickly reduced as the fraction of a target task assigned to
computers with smaller T'H increases.

A two-step heuristic approach to partitioning a target task for minimizing its
average parallel execution time (7) is described with a theoretical model (Chapter 3).
The proposed approach achieves a shorter 7 by assigning a fraction of target task,
which is larger than the fraction determined proportional to the average computing
power, to a computer with a smaller T'H or a higher average computing power.

The reduction in 7 by the proposed approach is greater when (i) variation of the
average computing power among computers is larger; (ii) variation of the standard
deviation of computing power among computers is larger; or (iii) the number of

computers employed is greater.
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7.2 Communication Systems

The effects of TH on the QoS’s such as throughput, end-to-end delay, and transfer
time on a heterogeneous network are studied in Chapter 4. The effects become even
larger when there also exists SH among links or paths. For the two applications,
path selection and multi-path data transfer, it has been demonstrated that significant
improvements in the end-to-end delay and transfer time are possible by considering
the standard deviation as well as the mean of available bandwidth on each link.

A heterogeneity aware approach (HAA) to improving performance of commu-
nication tasks by utilizing the information on variation of available communication
resources is proposed (Chapter 5). The proposed HAA source rate control scheme
dynamically controls the source rate such that the rate is “penalized” more for a
higher level of heterogeneity.

The performance of HAA source rate control has been analyzed in detail through

simulation, and results may be summarized as follows:

e HAA can significantly increase the effective throughput and decrease the packet
dropping rate, compared to the typical network measurement based approaches
(the mean-only and minimum-bandwidth schemes) which do not utilize the

heterogeneity information.

e Compared to TCP, the bandwidth utilization of HAA is much less sensitive to
the path length (or round-trip time), and the aggregated throughput is even
better than that of TCP when the path length is long. The inter-flow fairness
of HAA is shown to be better. Also, HAA has a much less variation in inter-

packet arrival time, i.e., it can produce a much more stable stream with less
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jitter than TCP. This is especially desirable in jitter-sensitive media streaming

applications.

e The results from the multi-path media streaming application show that HAA
can improve the real-time performance measures (missing and duplicate rates)

without degrading the effective throughput substantially.

e It has been verified that the proposed scheme can be properly tuned to achieve
fair sharing of bandwidth with other flows (HAA or TCP) on a network path

and produce “responsible” traffic.

The proposed HAA source rate control scheme is very promising in various ap-
plications, especially where the real-time QoS’s are concerned. By quantifying T'H
and SH in communication resources, it can produce a more comprehensive picture of
resource variation and distribution, and provide a direct control of data transmission

in a more predictable manner.

7.3 Future Work

Further improvements can be made for each component in the proposed schemes.
For example, 1) more sophisticated resource measurement techniques can be designed
to improve the accuracy of measurements; 2) the features (heterogeneity) of other
network resources such as the packet buffer size can be utilized to further improve the
performance; 3) the source rate function can be customized for different applications
or services.

Also, applications to the following areas well deserve investigation:
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7.3.1 Data-Intensive Computing Systems

So far, the HAA has been considered in computing and communication indi-
vidually. However, in many applications, such as data-intensive high performance
computing, both computing and communication are to be considered. It would be
worthwhile to investigate interaction between them in application of the HAA to such

tasks.

7.3.2 Application to Overlay Networks

Overlay networks have received a great deal of attention recently, and it can pro-
vide another framework for applying HAA without worrying about technical details
on lower layers of the network (physical, data link layers, etc.) Resilient Overlay
Network (RON) [49][50], Multicast Backbone (M-Bone)[51], and X-Bone [17][18][19]
are three well-known overlay frameworks. Specifically, HAA can be applied to the

path selection and dynamic routing problems of an overlay network.
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